Chapter

7 Appendix B: PARTNER side
CONFIGURATION

7.1 Screenshots from AIPHONE IX-Support-Tool :

¢ Identification Menu :

= Station Information Station Information
- ldentification Identification
ID and Password #
Time
: Number | Name Location | Station Type
“- Expanded System
lﬂ Network Settings
- System Information 0001 IXMV7 IX-MV7-*
(- Call Seftings 0002 4446 XDV IX-DV, IX-DVF(-*)
[+ Option Input / Relay Output Settij
prones y Outp 0003 4447 IXDA IX-DA
[+ Paging Settings
[+ Function Settings 0004 4448 IXS52G IX-55-2G
e ID and Password Menu :
(=) Station Information Station Information Station Information
- Identification Identification ID and Password
#
Number Name Location Station Type Administrator ID Administrator Password
---- Expanded System
¥ Network Settings
& System Information 0001 4445 IXMV7 IX-MVT7-* aiphone kA
{#- Call Settings 0002 4446 IXDV IX-DV, IX-DVF(-*) |aiphone
- Optlén Inpuﬁ Relay Output Settirl| 0003 4447 IXDA IX-DA aiphone rrraan
- Paging Settings ‘
& Function Settings 0004 4448 IXS52G IX-S5-2G aiphone
¢ Time Menu:
[=)- Station Information Station Information Station Information
i Identification Identification Time
-~ IDand Password # Time Zone
Number Name Location | Station Type
P Expanded System Select time zone
[#- Network Settings
Iﬂ System Information 0001 4445 IXMV7 IX-MV7-* (GMT-08:00) Pacific Standard Time (US), Tijuana
" Call Settings 0002 4446 IXDV IX-DV, IX-DVF(-*) | (GMT-08:00) Pacific Standard Time (US), Tijuana
€ Option Input/ Relay Output Setif 03 4447 IXDA IX-DA (GMT-08:00) Pacific Standard Time (US), Tijuana
Paging Settings
0004 4448 IXSS2G IX-S5-2G (GMT-08:00) Pacific Standard Time (US), Tijuana

=]

Function Settings
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7 - Appendix B:

IP Address Menu :

PARTNER side CONFIGURATION

- Station Information ~ Station Information Network Settings Textin red are requires
- Network Settings Identification IP Address
# - IPv4 Address
Number Name Location Station Type IP Version | Static/DHCP | IP Address lsubnet Mask NDefauItGatevay
Multicast Address L |2 |3 I‘ I‘ lz la l‘ l' lz la l"’
Video 0001 4445 IXMV7 IX-MV7-* IPv4 ~(192 1688 1 10 255 265 256 0 192 168 1 1
~ Audio 0002 4446 IXDV IX-DV, IX-DVF(-)  |IPv4 Static 192 168 1 11 255 255 255 0 192 168 1 1
"'::_‘;ke' Priortty 0003 4447 IXDA IX-DA 1Pv4 Static 192 168 1 12 255 255 255 0 192 168 1 1
(& System Information 0004 4448 1XSS2G IX-55-2G 1Pv4 Static 192 168 1 13 255 255 255 0 192 168 1 1
e DNS Menu:
&- Station Information 7S | Station Information Network Settings
- Network Settings Identification DNS
IP Address ¥ a Primary Server ‘
Number | Name | Location | Station Type 1Pv4 \
SIP | - IPv6
Multicast Address | | | 1|2 [3 [4 ‘
Video 0001 4445 IXMV7 IX-MV7-* 192 168 1 1
Audio 0002 4446 IXDV IX-DV, IX-DVF(-") |192 168 1 1
:::‘Q'P"m“’ 0003 4447 IXDA IX-DA 192 168 1 1
- System Information 0004 4448 1XSS2G IX-55-2G 192 168 1 1
e SIP Menu :
@- Station Information R [ Station Information Network Settings Text
& Network Settings Identification SiP
IP Address # - SIP Connections Primary Server
oS Number Name Location Station Type
SIP Signaling Port | User Agent D Password
Multicast Address X 1 | 1 1 1
Video 0001 4445 IXMV7 IX-MV7-* 5060 4445
Audio 0002 4446 IXDV IX-DV, IX-DVF(-") 5060 4446
::‘:“ Erionty 0003 4447 IXDA IX-DA 5060 4447
- System Information !ms IXS52G IX-55-2G 5060 4448
o
¢ Multicast Address Menu :
(- Station Information N S'fnﬁn Iniormgnﬁn ] Networka(ﬁnqs
= Network Settings Identification Multicast Address
IP Address # Master Station: For Call / Paging, Video Door Station: For Call
DS Number | Name Location | Station Type IPv4
SIP IPV6
I . . 1 |3
Video 0001 4445  IXMV7 IX-MV7-* B o o
Audio 0002 4446 IXDV IX-DV,IX-DVF(-) |224 0 0 2
Packet Priori
u::‘“ oy 0003 4447 IXDA IX-DA 24 0 o0 3
o
e Video Menu :
- Station Information = .Siaﬁon Information Network Settings Text in red are required seftings
£ Network Settings Identification Video
- IP Address # Video Encoder 1
DNS Number Name Location | Station Type
SIP Video Codec | Resolution Fran| Select Pro| I-picture inter| Bit rate [kbp| RTP Start Port) RTP End Port
- Multicast Address ] |
0001 4445 IXMV7 IX-MV7-* 30000 31000
Audio 0002 4446 IXDV IX-DV,IX-DVF(-") |H264/AVC  640x480(VGA) 15 Baseline 15 1024 30000 31000
':ﬁmp'm" 0003 4447 IXDA IX-DA H264/AVC  320x240(QVGA) 16 Baseline 15 1024 30000 31000

IWR IX Range with OXO from Aiphone

Page 46 of 66



Chapter

7

e Audio Menu :

. Appendix B:

PARTNER side CONFIGURATION

&- Station Information ~ Station Information Network Settings Textin red are required settings.
= Network Settings Identification Audio
- IP Address #
DNS
ap Number | Name Location | Station Type Audio Codec Audio RTP Transmission Interval [msec] | RTP Idle Detection Time [sec] | Audio 1 RTP !
Multicast Address 1 1 T
Video 0001 4445 IXMV7 IX-MV7-* 20 10
0002 4446 IXDV 1X-DV, IX-DVF(-") 20 10
Packet Priori
{ NTP fty 0003 4447 IXDA IX-DA 20 10
& System Information 0004 4448 IXSS26 1X-55-26 20 10
e NTP Menu:
&- Station Information ~ | Station Information Network Settings Textin red are required settings.
& Network Setlings Identification NTP
IP Address # Primary Servar Secondary Server
:::5 Number Name Location Station Type Enable NTP Synchronization Interval [hour] | Address Port Address
gl
Multicast Address 1Pvd IPve 1Pvd IPve
Video 0001 4445 IXMVT 1X-MVT-* v 24 nip.pool.com 123
Audio 0002 4446 IXDV IX-DV, IX-DVF(-") | Yes 24 nip.pool.com 123
Packet Priority 0003 4447 IXDA IX-DA Yes 24 ntp.pool.com 123
& System 0004 4448 IXSS2G IX-55-2G Yes 24 ntp pool.com 123
o .
e Station Information Menu :
- Station Information ~ Station Information Call Settings
- Network Settings Identification Station Information
IP Address #
-~ DN
EIPS Number Name Location | Station Type Call Button Function
Multicast Address 1
Video 0002 4446 IXDV IX-DV, IX-DVF(-*) Call, Answer Call, End Communication
- Audio o004 [WREBININ ixss26 X-55-2G Call, Answer Call, End Communication
Packet Priority
NTP
- System Information
=- Call Settings

I Station Information I

e Address Book (For Master Station) Menu :

Station Information A
Network Settings

IP Address

DNS

siP

Multicast Address

0001

‘ Station Information Address Book Text in red are required seftings.
| Identfication " 4446 4447
IXDV /1X-DV, IX-DVF(-") IXDA/IX-DA
Number | Name Location | Station Type
Select | Network Camera Select Network Camer:
s oo | S .

Video
Audio
Packet Priority
NTP

System Information
Location Registry
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. Appendix B: PARTNER side CONFIGURATION

e Called Stations (Door/Substations) Menu :

- Station Informaticn A~

(= Network Settings
IP Address
~DNS
sIP
Multicast Address
~Video
Audio
Packet Priofity
NTP
[ System Information
= Call Settings
Station Information

0002
0003

Station Information

Identification

Number Name

4446 IXov

447

1Xs82G6

Location | Station Type
1X-DV, IX-DVF(-*) 3
1X-DA 2
1X-55-2G6 2

Call Seftings
Called Stations (Door/Sub Stations)
Group 01

Textin red are required settings

Number / Name / Station Type
‘mBiIXSSZGIIX-SS-ZG ‘MSOiEmergencylvolP Phone

u u

[ - |

u

e VolP Phone Registration Menu :

LA dUpport 1001

Category. Video Staton  Swon Typa: (X-DA

Row

Number of Notes 5

Station View

X Support Tool - Mo Phone Registration] %

VolP Phone Registration

4 Staton informaton A

1P Address B

Call Onginaton

To delete Vol Phone. all Ine sems must be biank

tees may ot be displayed o

ty on (X-MV7-* due o font bype

Station List Tex! n red are required settngs |

[ Namoer Name Locaton [ &

Emergency =

e Call Origination :

Tent in rad are raqurred settngs.

4450/ Emergency 1 Vol Phone.

- Station Information ~
=) Network Setings

IP Address #

DNS

SIP

Multicast Address

Video

Audio

Packet Priority

NTP
- System

Station Information
Identification
Number | Name
IXMV7
IXDV

IXDA
IXS82G

4446
4447

Call Settings
Call Origination
Call Button

Location | Station Type

Call Method
X-MVT-*

1X-DV, IX-DVF(-*)
IX-DA

- Location Registry
Address Book
Group (for Master)
Custom Sound Regisiry
- Call Setings
Station Information
Called Stations (Master S1
Called Stations (Door/Sut

¢ Relay Output :

Standard Destination
‘Standard Destination

Text in red are required seftings

Call Timeout
Ringback Tone Ringback T¢
Select

10-600 sec 60

Standard Mode S
Call Destination
Call Pattem 4 Infinite
Call Pattern 1
Call Patiem 1

Call Pattern 1

10-600 sec 60
10-600 sec 60
10-600 sac 60

Infinite 01
Infinite 10
Infinite. 01

Station View |2. when setto biank, it will perform in association with the contact change of Retay Output 1 on all SIF command ofiginating stations.
G >
Video = Statien Information Option Input / Relay Output Settings. Textin red are required settings.
Audio Identification Relay Output
Packet Priority # ¥ Relay Output 1 (Qutput Time s valid when Relay Output function is set to Door Release o is controlied b’ Relay Output 1
NTP T T
Number | Name || Station Type N Sound Settings
& System Information Output Time Range | Qutput Time Door Release Authorization | P —
Location Registry Door Release
Address Book 0001 - XMVZ DMV 200-2000 [msec] 400 66092598657547818628 Operation Sound
Group (for Master) 0002 4446 XDV 1X-DV, IX-DVF(-") 200-2000 [msec) 400 51849657395646761575 Operation Sound
Custom Sound Regi
& call S"mes undReas N oogs  aas7 IXDA IX-DA 200-2000 [msec] 400 15846161839581737504 Operation Sound
Station 0004 4448 IXSS26 IX-55-2G 200-2000 msec] 400 80514637145702775851 Operation Sound

Called Stations (Master St
Called Stations (Door/Sut:
Call Origination
Incoming Call

- Option Input/ Relay Output S
Option Input

Relay Output
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Chapter 7 - Appendix B: PARTNER side CONFIGURATION

e Absent Transfer :

Address Book ~ | Station Information Transfer Setlings Textin red are required seftings.
Group (for Master) Identification Absent Transfer
Custom Sound Registy 4 Transfer Destination List Re-Transfer Dest

- Call Settings
"o Number | Name | | Station Type Absent Transter Number
Station Information Station List

Called Stations (Master 51 No.01 No.02 No03 NoO4 NoO5 No06 No.07 No08 No02 No.10
Called Stations (Door/Sut 0001 4445 IXMVT IX-MVT-* Enable Open “ Open
Call Origination
Incoming Call

&+ Option Input / Relay Oulput S¢
Option Input
Relay Output

- Paging Settings

- Function Settings

= Transfer Settings

Station List

e Delay Transfer :

Station View [ TA-MIV TR e IR, | | TATESIT LRSUTEUGH

Address Book “ Station Information Transfer Seftings Text in red are required settings.
Group (for Master) Identfication Detay Transfer
Custom Sound Registry s |
& Call Seftings. Number |Name | I Station Type | Delay Transf Delay Time s Number
Station Information Station List
Called Stations (Master St NoO1|No02 | No.03 |NoO4 |No.0S |No0G |NoO7 |No.0B |No09 |No.10
Called Stations (Door'Sut | 0001 4445 XMV7  IXMV7+ | Enable 30 [ Open Open
Call Origination
Incoming Call
=+ Option Input/ Relay Output S1
Option Input
Relay Output
# Paging Settings
@ Function Settings
& Transfer Setings
Absent Transter

Delay Transfer

Schedule Transfer

Transfer Destination List Re-Transfer De

1 Station List

° Schedule Transfer :

Address Book A Station Information Transfer Seftings
Group (for Master) Identification Schedule Transter
Custorn Sound Registry -
= Call Seftings.
Station Information ~
Called Stations (Master St Station List No.01 No.02 No.03
Called Stations (Door/Sut 0001 4445 IXMVT IX-MVT- Enable Open
Call Origination
Incoming Call
- Option Input / Relay Output S
Option Input
Relay Output
Paging Setlings
Function Settings
Transfer Setlings
Absent Transfer

‘Weekly Schedule (Sun) 01
Number | Name |l Station Type | Schedule Transfer | Transfer Destination List

- E -
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7.2 Screenshots taken during test in lab

OXO connect 10.1.3.50

& Outil d'assistance IX - [Login] X

Login d’outil d’assistance IX N

ID

Mot de passe

admin

Mnl‘“er

. Appendix B: PARTNER side CONFIGURATION

= = [Display Settings]  [Related Settings]
ow Previous X olumn i = E
Table View — e ; |EETXINEN | ' Vol Phone Registration
| Display | Display
Number of Notes5  [1 U = Unicast, M = Multicast
Station View if designating “M", multicast IP addresses must be configured for the station(s).
@ Station Information Station Information Call Settings Text in red are required seftings.
&I- Network Settings Identfication Called Stations (Door/Sub Stations)
#- System Information # Total | Group 01
= Call Sett
08, Number | Name Locaton | Station Type Number/ Name / Station Type
Station Information
Called Stations (Master Statid 157 /80785 / VolP Phone 158/8068S / VOIP Phone 161/ linphone mac / VoiP Phone
Called Stations (Door/Sub St§ 0002 167 ov 1X-DV, IX-DVF(-") 1 u
Call Origination 0003 168 DA IX-DA 0
Incoming Call
#- Option Input / Relay Output Settir
#- Paging Settings
#- Function Seftings
[Display Seftings] [Related Settings]
Row Pravious Column P x
— ] M
Display Display
Number of Notes:5 |1, U = Unicast, M = Multicast
Station View 1t designating "M", multicast IP addresses must be configured for the station(s)
@ Station Information Station Information Call Settings Text in red are required setings
@ Network Seftings Identification Called Stations (Door/Sub Stations)
- System Information # Total | Group 10
= Call Seftiny
o Number | Name Location | Station Type Number / Name / Station Type
Station Information
Called Stations (Master Stati BO78S / VolP Phone 158/8068S / VoIP Phone 161/ linphone mac I VolP Phone
Called Stations (Door/Sub St} 0002 167 DV IX-DV, IX-DVF(-*) 0
cwowmn o w  on - R
Incoming Call
" 0004 169 5526 1X-55-26 0

- Option Input / Relay Output Sett
- Paging Settings

@ Function Settings

@ Transfer Settings

& IX Support Tool - [Called Stations (Door/Sub Stations)] - [System Name:ALE-IX-AIPHONE-OXO0-50]

Uplodd SSL Certificate
Import Setting File
IX Support Tool Export System Configuration

1. U = Unicast, M = Multicast
If designating "M", multicast |IP addresses mus

File(F) | EittE) Language(V) Tools(T) Help(H)
Create New System

B Select Existing System

T7 Delete Existing System

Update Settings i
'y Download Settings From Station ‘ Previous | | Next

|+ Uplgad Settings To Station | Display
5

B

B

-y

Export to Line Supervision Software nation
Exit
& System Information 2 |
T C_aII Setings Number Name Location Stal
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. Appendix B: PARTNER side CONFIGURATION

| 18 IX Support Tool - [Setting File Upload] - [System Name:ALE-IX-AIPHONE-OXO-50]

File(F) EIE) Language(V) Tools(T) Help(H)

AIPHONE TX Support Tool

PressF1(orFn+F1)|

Table View ‘

Setting File Upload

Station View

Select the station(s) to upload the Setting File(s):

[

Station List

Text in red are required seftings

Station Information Select | Number

System Information O
Call Settings
Station Information a
Called Stations (Master Statid ]

167 ov
168 DA

Name
Network Settings 166 M7

169 SS2G6

Location

Station Type
IX-MV7-*

1X-DV, IX-DVF(-*) -

IX-DA
1X-85-2G

Status

Called Stations (Door/Sub St|
Call Origination
Incoming Call
Option Input/ Relay Output Settir}
Paging Settings
Function Settings
Transfer Settings
= Station Seftings
Speed Dials / Favorites

Select Station by Type:

Privacy

Volume / Tone
Communication
Monitor

Master Station Display
Camera

All

Seftings

v Select i

Selectfile type to be uploaded

Unselect

[#- Station Information G

- Multicast Address

Station Information

Call Settings

Identification

Station Information

Number Name

Location

Station Type

Call Button Function

Video 0002

- Audio

167 Dv
169 552G

IX-DV, IX-DVF(-*)

IX-55-2G

Call, Answer Call, End Communication

Call ~

Packet Priority
: NTP
& System Information
- Call Settings

| Station Information

allnd bl Jhhm b B

Row Previous | | Next

| | Display

[Move to Related Settings]

SIP Connections

Call

Call, Cancel Call, End Communication
r Call, End Communication

Call, Answ

Number of Notes:2 1. To set VolP Phone Volume Adjustment, go to “Station Settings -> Volume/Tone -> Volume -> VolP Phone Volume Adjustment”
2. To set VoIP Phone Call Priority, go to "Call Settings -> Incoming Call > VolP Phone Call Priority”

Textin red are required sefting

Station Information Network Settings.

Identification SiP
# SIP Connections Primary Server >8C0Nt

Number Name Location Station Type

SIP Signaling Port | User Agent D Password |Pv4 Address | IPv6 Address Port D
0001 166 Mv7 IX-MV7-* 5059 166 s 10.1.3.50 5059
0002 167 Dv IX-DV, IX-DVF{(-*) 5059 167 am 10.1.3.50 5059
0003 168 DA IX-DA 5059 168 Horam 10.1.3.50 5059
0004 169 S$82G IX-§5-2G 5069 169 e 10.1.3.50 5069
&
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I8 1X Support Tool - [VoIP Phone Registration]

VolP Phone Registration

Location Registry

Certain characters may not be displayed correctly on IX-MV7-* due to font type.

| To delete VoIP Phone, all line items must be blank.

Station List Textin red are required settings.
# Number | Name | Location a)
142 sip 8088app
0002 | 145 8068S
0003 | 157 8078S
0004 | 158 8068S
0005 |161 linphone mac
0006 | 504 Hunt-group
0007
Station Information Call Settings Text in red are required settings
Identification Called Stations (Door/Sub Stations)
# Total | Group 01
Number Name Locatien Station Type Number / Name / Station Type
| | 8068S / VoIP Phone 7161IIInpmmac.rVo|P Phone 504 / Hunt-group / VolP Phone
0002 167 bv IX-DV, IX-DVF(-*) 1 u
0003 168 DA IX-DA 0
0004 169 S$s2G I1X-S5-2G 1 U
- Display Setings [Related Settings]
Row Previous I Ne Column us l VolP Phone Registrat
|_ Display | Display

Number of Notes:5

1. U = Unicast, M = Multicast
If designating “M", multicast IP addresses must be configured for the station(s).

Station Information [

Call Settings

Textin red are required seftings.

Identification
. .
Number Name
0002 167 bv
0003 168 DA
0004 169 SS2G

Total
Location | Station Type
IX-DV, IX-DVF(-*) 1]
IX-DA 1
1X-5S5-2G 1]

Called Stations (Door/Sub Stations)
Group 10

Number / Name / Station Type
8068S / VolP Phene

161/ linphene mac / VolP Phone

504 / Hunt-group / VoIP Phone

_\4
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I File(F) Edit(E) Language(V) Tools(T) Help(H)

APHONE TX Support Tool

Table View

@ @&

@

Station View

Station Information
Network Settings
System Information
Call Settings
Station Information
Called Stations (Master Stati(
Called Stations (Door/Sub St
Call Origination
Incoming Call
Option Input/ Relay Output Settir
Paging Settings
Function Settings
Transfer Settings
Station Settings
Speed Dials / Favorites
Privacy
Volume / Tone
Communication
Monitor
Master Station Display
Camera

Door Release Assianment

PressF1(orFn+F1)keya

’ Setting File Upload

Select the station(s) to upload the Setting File(s):

| Station List

Text in red are required settings ]

IX-MV7-*
IX-DV, IX-DVF(-*)
IX-DA

Select |Number | Name Location | Station Type Status
166 Mv7

167 bv
168 DA

[SHSHS]

169 §52G 1X-55-2

IX Support Tool

Select Station by Type:
[ 7

Select Unselect

Selectfile type to be uploaded

| Settings N | Sounds Image

7.3 OXO Connect Evolution 10.1.3.70

Q File will be uploaded. Continue?

Annuler

Schedule

&) IX Support Tool - [Identification] - [System Mame:ALE-IX-AIPHONE-OXO-ipbox-70]

File(F)

Edil(E)

Language(V) Tools(T) Help(H)

APHORE IX Support Tool

Table View

Row Pre

‘ Display

Station View

Add Station

[Related Seftings]

Remove Statior

Number of Notes:3

1. Locations must be created in the Location Registry before they can be assigned to
2. Station Type cannot be changed once registerad. To modify, station must be rema

- Station Information

B |[dentification

- 1D and Password
- Time

- Expanded System
- Network Settings

- |IP Address
-~ DNS
~SIP

Video
Audio

Dl mlomd it s

Multicast Address

A Station Information

Identification I’\\s

Number Name Location

0001 120 MV7
o002 121 Dv
0003 122 DA

0004 123 552G

Station Type

IX-MV7-*

IX-DV, IX-DVF(-*)
IX-DA

1X-55-2G
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"5 Station Information A Station Information Network Settings Textin red a
Identification IP Address
1D and Password # 1Pv4 Address 1PV6 Addrt
Time Number  Name Location | Station Type Hostname | IP Version | Static/DHCP | IP Address Subnet Mask Default Gateway
a m::;an;:::mm ‘1 ‘2 ‘3 4 1 ‘2 ‘3 4 1 ‘2 ‘3 s
0001 120 Mv7 IX-MV7-* IPvd Static 10 1 4 10266266 0 O 10 1 2656 264
2"5 0002 121 ov IX-DV, IX-DVF(-*) 1Pv4 Static 10 1 4 11266265 0 0 10 1 266 254
M':muum’ 0003 122 DA IX-DA 1Pv4 Static 0 1 4 12255255 0 O 10 1 265 254
Video 0004 123 552G 1X-55-2G 1Pvd Static 10 1 4 13265285 0 0 10 1 256 254
Audio
T Station Information Network Seftings Text
Identification SIP
# SIP Connections Primary Server Set
Number Name Location Station Type
SIP Signaling Port | User Agent ID Password |Pv4 Address | IPv6 A| Port D
0001 120 MV7 IX-MVT7-* 5059 120 Fmanaa 10.1.370 5059
0002 121 DV IX-DV, IX-DVF(-*) 5059 121 Fapnan 10.1.3.70 5059
0003 122 DA IX-DA 5059 122 e 10.1.3.70 5059
0004 123 552G IX-55-2G 5059 123 i 10.1.3.70 5059
Station Information Network Seftings
Identification SIP
# Tertiary Server Miscellaneous
Number | Name Location | Station Type
Port Register Transmission Interval [sec] | DTMF digitin'
0001 120 Mv7 IX-MV7-* 5060 120
o002 121 Dv IX-DV, IX-DVF(-*) 5060 3600
0003 122 DA IX-DA 5060 3600 L
0004 123 852G IX-55-2G 5060 3600
Station Information Network Settings
Identification NTP
# Primary Server Se
Number Name Location Station Type Enable NTP Synchronization Interval [hour] | Address Ad
1Pv4 IPv6 ot E
0001 120 MV7 IX-MV7-* Yes 1 101370 123
0002 121 DV IX-DV, IX-DVF(-*) |Yes 1 101370 123
0003 122 DA IX-DA Yes 1 101370 123
0004 123 SS2G 1X-S5-2G Yes 1 10.1.3.70 123
Station Information Call Settings Text in red are required settings.
Identification Called Stations (Door/Sub Stations)
# [ Total | Group 01
Number | Name Location | Station Type Number / Name / Station Type
S52G/IX-55-2G [ 108180285 1voiP Prone ‘116!Imprm!vn|PPnnne
0002 121 DV 1X-DV, IX-DVF(-*) 1 u
0003 122 DA IX-DA 0
0004 123 S52G IX-55-2G 1 _"
| pispiay Display
Number of Notes:5  [1. U = Unicast, M = Multicast ]
If designating “M", multicast IP addresses must be configured for the station(s). g
Station Information Call Settings Text in red are required settings.
[ Identification Called Stations (Door/Sub Stations) ‘
# Total | Group 10
Number Name Location | Station Type Number / Name / Station Type
S52G/1X-55-2G 108180285 /VolP Phone | 116/ 1inphone / voiP Phone |
H 121 bv IX-DV, IX-DVF(-*) 0 | |
sz oa xon 1 L B
0004 123 $82G IX-S5-2G 0
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I8 X Support Tool - [VoIP Phone Registration] x
VolP Phone Registration
Location Registry To delete VolP Phone, all line items must be blank.

Certain characters may not be displayed correctly on IX-MV7-* due to font type.

Station List Textin red are required settings.

#

0002
0003
0004

Number

116

| Name ‘ Location )

80285

linphone
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- Appendix C: ALE side CONFIGURATION

8.1 Management of OXO Connect and OXO Connect Evolution

The management of parameters for OXO Connect and OXO Connect Evolution is done with same tool called

OMC (Oxo connect Management Console).
This tool is for MS Windows and will connect to OXO Connect & Evolution using an https connection.

Welcome to OMC

oMC =@

—0

e Data Collection and Tools
e Installation Typical
e Modification Typical
e Multi site
e Expert

Language...

[ timays stast vith “Weicome™

#- 3 Customer PCX

Help

8.2 Voice Over IP parameters

Local V24
Modem Diect
Modem Calback

LANAWAN

[ Compatibilty to older reieases (il 410)
[ Serves suhantication

[oc, ] o

L
Fle Comm View Options
wHES & B 7
OMC [omc
B OMC
& Toos Communication Path X

POX Name/P Address [101.350

@0 . ement Console - [Data .
File Comm View Options B OXO Connect M Cor o IXO-AA
s H@s & B File Comm View Options
omC [VolP: Parameters ALK
o oMc - o5 [ [Tp—— oMC [ VolP: Parameters
& Tools
£ T3 OXO-AAPP-SIP-50 VolP: Paramd  Geneidl Gateway SIP Tunk  SIP Phone <R OMC ~ B |vore:parameters
@ Customer/Supplier Info & Tools

I& Installation typical

& Modification typical
@ 03 Numbering

[k Collective Speed Dialing
%) Emergency

' Directory

'3 LDAP Connector

§ Subscribers/Basestations List
@l @ Voice Processing

D) Time Ranges

A Attendant Groups

£ Hunting Groups

[ Broadeast Groups

¥ Pickup Groups

[ Manager-Secretary Relations
- Subscribers Misc
-5 Extemal Lines
%% Hardware and Limits
3 & Metering
4§ Traffic Sharing & Barring
&+ ) Network Management Control
&8, Voice Over IP

[ VolIP: Parameters
1 VolP: Traffic Counters

) $9 System Miscellaneous

Nurmber of Trunk Channels for trunks wihout reservation

&

VolP Channels
VolP Channels mode Muti-codecs [16]
Humber of VolP Channels

VolP Channels for tiunks with reservalion

[ (] (&l

VolP Channels for IP phones and trunks without reservation
'SIP Trurk channels’ icence

HNumber of '5IP Trunk channels’ icences

l

SIP Trunk channels' licences for trunks with reservation

& L&

'SIP Trurk: channels’ icences for turks without reservation

1P Quality of Service

Advanced...

=3 OXO-AAPP-SIP-50
@ Customer/Supplier Info
8% Instaliation typical
& Modification typical
@ 03 Numbering
[k Collective Speed Dialing
4 %) Emergency
1) Directory
‘.3 LDAP Connector
3 Subscribers/Basestations List
%@ Voice Processing
D) Time Ranges
3 Attendant Groups
& Hunting Groups
7 Broadcast Groups
{5 Pickup Groups
7 Manager-Secretary Relations
w-Ja Subscribers Misc
&% External Lines
& %7 Hardware and Limits
& § Metering
@ §§ Traffic Sharing & Barring
&) Network Management Control
=8 Voice Over IP

#- @ Security

&5 Impor/Export

) %y, History & Anomalies
%% Data Saving & Swapping

v

T France Alcatel Lucent OXO Connect R1.x..R40:x Business

IWR IX Range with OXO from

Aiphone

affic Counters.

% P System Miscellaneous
D Carvuins

VolP: Param

Default Transport Mode

I Doman Name
Authentication Realm

|S\P Phone Signal Port

Timer T1

Timer T2
Nurmber of Retries.

Registiation
30014 s
[ 30is] s

[ARTCP attribute in SDP

Register Retry Time

Register Expire Time

[] Monce Caching
Audio Codecs Dynamic Payload
Law Mods Adaw DTMF
PieleredFramng (30~ OPUS

o] o ],
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8.3 Subscriber parameters

The IX stations are managed as “Open SIP Phone” terminals.

R OXO Connect

File Comm View Options

nagement Console - [Database:

Customer ID: OXO

T K

omC

Subscribers/Basestations List

o oMC
& Tools
-3 OXO-AAPP-SIP-50
@ Customer/Supplier Info
£& Installation typical
& Modification typical
03 Numbering
{Zk Collective Speed Dialing
+) Emergency
& Directory
'.> LDAP Connector
§ Subscribers/Basestat
[J Voice Proces:
€D Time Ranges
A3 Attendant Groups
&b Hunting Groups
Broadcast Groups
Pickup Groups
Manager-Secretary Relations
f& Subscribers Misc
2 Extemal Lines
%7 Hardware and Limits
& Metering
B Traffic Sharing & Barring
£ Network Management Control

ile Comm View Options

wLES @ B ?

oMC

B OMC "

& Tools
=T OXO-AAPP-SIP-50
@ Customer/Supplier Info
& Installation typical
B& Modification typical
403 Numbering
% Collective Speed Dialing
4 #) Emergency
L) Directory
DAP Connector
#I- @ Voice Processing
(® Time Ranges
A3 Attendant Groups
4 Hunting Groups
Broadcast Groups
2 Pickup Groups
[ Manager-Secretary Relations
48 Subscribers Misc
4-{% Extemal Lines
+- %% Hardware and Limits
i § Metering
i1 Traffic Sharing & Barring
+ &) Network Management Control
115, Voice Over IP
41§ System Miscellaneous
o Security
45 Import/Export

Physical in service

Customization Yersion

-
Subscribers/Ba...
List
|subscribers/Basestations List N x
OFPhy. Add @ No. O Teminal/Basestat. O Name Add
000101 | (103 v -
elete
94.024.01 150 8038 Premium DeskPhone 26ecL3@U ~
9402501 151 PC Mukimedia Pimphory-0F Modify
9400601 T IPT 8158 TPTST5es 1
3401601 153 80285 Premium DeskPhane Maison‘153
34.017-01 154 8028 Premium DeskPhone 560034102 154 ¢
9402701 155 8038 Prenium DeskPhone user155 LD
94.047.01 157 80785 Premium DeskPhone IPT-80785-157 e
3404301 i -B0RAS-
9402201 153 IP Deskiop Softphone IPDSP MAC Profiles
3403401 161 Open SIF Phone SLE )=t
9404001 166 Open SIP Phane M7 Fil
9403501 167 Open SIP Phone bV GAPR
9400201 168 Open SIP Phone DA &2
3400101 169 Open SIP Phone $526 v
Automatic provisioning for IP phones deactivated Auto Provision
Retum
Phy. Add [3+0e0m ] Keys va
Subg Mame [z | Festues Password
Ll Metering 1SON
Ink. No [ - More
a Secondary sats EsSFeD 1P/SIP Parameters
= | Spd Dial
E [z
| Baning
Terminal
[ Lo MAC Address hex)
34 Oiiginal Type Open SIP Phone Dyn. Rout
9
94 Temporay Type DECT/PWT
: | I
IP/SIP
KL &7
o an; English v ContServ ot
Mobilit
v ve Detection
a BootLosder Version —
94 DataVersion [=== ] DTLS Encryption
94
a4 Hardware Number
| Serial Number
A
Locakzation Version

Media
Entity Entity1 ~
Hot Desking set [[] Out of Service llogicaly)
oK Cancel

IP/SIP Parameters

IP Parameters | SIF Parameters

SIP password

SIP authentication

Dynamic Routing is used to define the auto overflow or diversion for external or local calls.
The diversion on Busy does work only for external calls.

IWR IX Range with OXO from Aiphone
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Sul X
e | [ va
Nane Foaues 1| [ Pasomod
Dir. Numbers e =
n e © —_
Spd Dial Misc.
) Baring Diversion
Terminal
Original Type Open 5IP Phone Dyn. Rout SelDivers
Ten Dynamic Routing b X fatel
MOt Pry Add Mo, Teminal Name Deetes | paint
Lan| [3404001] [166 [Open SIP Prone | [Mv7 | E
silbox
S Tine1 [12_]2 sec | [Timm2 3 e | E; :
=
Bog [[]WMU as Auto. Attendant (lev. 1) [JWMU as Auto. Attendant (lev. 2)
Dat{ Mazimum number of Dynamic Routing Cascading Levels D £
e [/ Rouling on busy
Level 1 Level 1
Loc| o
[A Use Timer 1 [ Use Timer 1
Cus| |Daslinaunn No |141 ] |Desunalmr\ No |500 ]
W Level2 Level 2
Enti [A Use Timer 2 [] Use Times 2
[ Routing to Gen. Level [[] Routing to Gen. Level
[ Gen. Bellto Gen. Level Gen, Bellto Gen, Level
[ Diversion Apply Diversion Apply
0K I Cancel
Configuration of phone features in each user:
Phy. &dd. 94-040-01 Keps V24
WETE MV Features Passwo —
Dir. Numbers Metering ISDN dFeature Rights
Int. No. [ |[es More
N ot Phy. Add No. Terminal MName
Feature Rights X
b [34040m1] [188 |Open SIPPhone | [Mv7 [ |
Phy. Add.  Me. Terminal Name E
[5+04001] [168 | [OpenSiPPhone | [Mv7 ok | iR ) _
E S B4 Transfer to extemnal [ Join incoming and incoming
Feature Rights Part 1 i
I; :E ich ;Ia’ 5 3 4 [[] Private Subscriber [] Jain incoming and outgoing
amp on Allowes 'aging
el i A
[ Camp on Protection Selective Diversion E d (] Infisit Flag [0 Join octgoing and oulgeing
rm— ] Evtemal Diversion E)ir Trunk Allot ] Remote Substitution
E [ S
Callback (automatic) Intrusion Allowed Ibo DND override allowed DDC Protection
Name Display [ Intrusion Pratection % E:e‘ | D Protection against DND override |:|Ass|gn Auth. for MTR charge
[ Call Pickup Allowed ‘Warntone Protection MF Transparency [JInkibition Time ranges
UUS Allowed 4 [ CLlis diverted party [] Remote custorn. Company greeting
[] Meet Me Cont activation WAN AP Access [[] Conference Bridge Allowed [[JRemote customization
[ My IC'web Suppart Video Sup
OK Cancel
Cancel Part 2 —
. — SIP Registration OK.
SIP Registration 0K f =
Media [:l Feature Rights x
Phy. Add. Mo, Temina Name |
[9404001] [168 Open SIP Phone | [Mv7 |
| Feature Rights Pat 3 |
[ Mailbox of initial Called party I
[ calback in'YM Consultation
[IMaibox remote consultation '
IreBand DTMF over SIP Trunk |
0K Cancel Part1

Voice mail Box configuration (automatically created).
User is automatically diverted to 500 voice mail when out of service.
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‘Subg Subscriber
~ Phy. Add. 94-040-01
Subs MName MV7
Dir. Numbers
L e FE T
Seconday st —
Eubs:rmer Mailbox %
Options  Personal Assistant Notification
el
G Mailbax Mode standard hd
Recording of Canversation allowed [J Out of MB option
Maibox screering activated Destination No
Voice Prompt - Yocal Name
Transfer and save as ...
& | H =1 =
& Load from and transfer -
[ = = > X
Voice Prompt - Personal Gresting
Transfer and save as ..,
= <= -
% Load from and transfer =
[ Il = > X
Cancel Delete Maibox |~ Delete

X
Keys Va4
Features Password
Metering ISDN
Pers. SPD Services
Spd Dial Misc.
Baring Diversion
Dyn. Rout. SelDivers
DECT/PWT Hotel
IP/SIP Appoint.
Cent.Serv Mailbox
Mobility Reset
ical in service
Registration 0K

ut of Service (logically)

8.4 Prefix & Suffix parameters

Prefixes are configured in internal numbering plan:

B OXO Connect Management Console - [Database: Customer ID: OXO-A

File Comm View Options

wHES @ @ T

oMC Numbering Plans
o OMC -

& Tools
53 OXO-AAPP-SIP-50 R

Plans

Customer/Supplier Info
ppl

Numbering Plans

ﬁ Installation typical
_t Medification typical
=03 Numbering

[ Installation Numbers Function

Cancel Mai Bocking

7 Default Configuration
7 Numbering Plans
M
[ Features in Conversation Brosdcast Group
T DDI Number Modification T: Secondary Trunk Group
7 Number Modification Table ?W"daw Truk Group
[ Splitting Table
% End of Dialing Table S ubscriber
[#-{_] Automatic Routing Selectior gubsnréher Tk G
E; Collective Speed Dialing Tk Brop

king

Start
“HE

End

econdary Trunk Grou Keep
Main Trunk Group 0 0 Drop
UbsCriber Diop

=2 2 Drop
7 ARS Keep
8 ARS Keep
9 ARS

0

200 293 200 Drop
300 149 300 Drop
350 350 ARS Keep
400 434 1 Drop

Priv Fax

: ke
Internal Numbering Plan | Public: Numbering Plan  Restricted Public Numbering Plan  Private Numbering Plan

Base NMT

Siptce/Trunkld

Secondary Trunk Group
+#) Emergency

‘w) Directory
+) LDAP Connector

=

Delete

Up

Down

Modify

x|

ﬂ Subscribers/Basestations List

Numbering Plans

. Appendix C: ALE side CONFIGURATION

Intemal Numbering Plan  Public Numbering Plan  Restricted Public Numbering Plan  Private Numbering Plan

Function Start End Base NMT Priv Fax Sipce/Ti

Cancel MailBocking | |*#6 Diop No ;
1 Drop No
Hunting Grou 500 525 500 Drop No
ppointment Drop No
Pick Up 65 B5 3 Drop No
r 1000 Direy Mo
Mailing . b Ho
AL Prefiv EA0 b Mo
[[Maiing 687 687 b No
Programming Mode 70 70 Drop No
Pick Up il 73 0 Drop No
Cancel Booking 74 74 Diop No
Lock/Unlock il 75 Diop No

IWR IX Range with OXO from Aiphone

Numbering Plans

Public Numbering Plan  Restricted Public Numbering Plan  Private Numbering Plan

Function Start End Base NMT Priv Fax SipAcc/Trun
Cancel Mail Bocking B Diop No
Join Meet Me 0 Drop Ho
Activate Meel Me 0 Drop Ho
Drop No
[[Call Fornarding 0 Drop Mo
olECtve speed O i} Drop Ho
Meter Total Recal 84 84 Drop No
Call Forwarding 85 85 10 Diop No
Set Replace 77 877 Drop No
Set Retrizve 878 878 Drop No
Diop No
Attendant Call 839 839 9 Diop No
ttendant Call 9 9 3 Drop No

Cancel
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Suffixes for features in conversation:

=4
File Comm View Options ?
LUEs & 3 ®
oMC | Features in Conversation
ot OMC ~
h £
& Tools :E
3 OXO-AAPP-SIP-50 Features in
Conversation
@ Customer/Supplier Info
B& Installation typical
& Modification typical tealures in Conversation
£-03 Numbering . [y
h Conwersation
= Installation Numbers e nonvers
B Default Configuration Function Start End
5 Numbering Plans Calback - bl [#
T W S
{55 DDI Number Modification T Cancel Enguiy H 2
" Broker's Cal 3 3
7 Number Modification Table Corfamnos 1 3
i litting Tabl Intrusion 5 5
Spiting Table Consult Camped Cal &0 &0
{9 End of Dialing Table Resend MF Codes 61 61
o Caltrated Loop 62 62
1 Automatic Routing Selectior Ca £ &
[k Collective Speed Dialing Cal Paking 65 65
Makcious Call ID 68 68
i-4) Emergency Paging Actviion 7 7 o
‘& Directory
29 LDAP Connector
3 Subscribers/B. List Ok Cancel
A e P i

8.5 Attendant parameters

The attendant group 1 has 2 operator phones: 100 is digital 8039 phone connected to UAI bard and 151 is
Pimphony windows software configured as Operator. To access the attendant group, dial 9 from OXO phones or
dial 899 for IX SIP stations.

L

File

wLEds @B ?

OMC [ attendant Groups
ol OMC -~ ﬂ
& Tooks
= T3 OXO-AAPP-SIP-50 “g""'"‘
@ Customer/Supplier Info o
8 Installation typical Attendant Groups [ x
& Modification typical
+ 03 Numbering Giow  Tips MembersHo.s Delete
. Index 1 2 3 4 5 5 7 8
B Collective Speed Dialing
) #) Emergency W —
lout.
W Directory 3 Paralel o
42 LDAP Connector 4 Paalel Meterng
3 Subscribers/Basestations List s Paralel
) 6 Paralel
® @ Voice Processing H e
(D Time Ranges @ Default Parallel SG 120 131 129
A Attendant Groups
Hunting Groups Rovan
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8.6 ISDN Trunk Group parameters

For placing external calls, we used a TO BRA access to public operator:

&8 OXO Connect Management Console -

[Database:

Customer ID: OXO-AAPP-SIP-50

File Comm View Options ?
DwHEs & B ?
oMC List of Accesses
ot oMC ~
- Tools I-
List of Accesses

£} 53 OXO-AAPP-SIP-50
@ Customer/Supplier Info
£& Installation typical
8& Modification typical
@03 Numbering
8k Collective Speed Dialing

SIP Gateway

[PURROUORIIR

i oot |
O Directory
' LDAP Connector
3 Subscribers/Basestations List
=@ Voice Processing 01 m] ,m
D T Faroes 0500, 01 L. ansg
A3 Attendant Groups 0400201 L!g. analog.
4 Hunting Groups 04.003-01 Lig. analog.
0400401 Lig. analog.
1 Broadcast Groups 04-005-01 Lig. analog.
-7 Pickup G 0400601 Lig. analog
5 Pickup Groups i 0400701 Lig. analog.
1 Manager-Secretary Relations 04-008:01 Lig. analog
3 Subscribers Misc
Retun

List of Trunk Groups

8.7 Software key, licensing parameters

. Appendix C: ALE side CONFIGURATION

R 0XO0 Connect Managemes
File Comm View Options ?
|
oMC | List of Trunk Groups
ot omMC
& Toois !
£ 53 OXO-AAPP-SIP-50 List of Trunk
§ Groups
@c Supplier Info

&& Installation typical

& Modification typical
(03 Numbering

B Collective Speed Dialing
[#)-4) Emergency

&) Directory

') LDAP Connector

3 Subscribers/Basestations List
{8 Voice Processing

D Time Ranges

A3 Attendant Groups

4 Hunting Groups

rozdcast Groups

ickup Groups.
Manager-Secretary Relations
& subscribers Misc

{5 List of Accesses
[ List of Trunk Groups.

@ Index

Retum

L List of Trunk Groups

ONa. O Type

Q) Name.

Ce Da Customer ID: OXO-AAPP-SIP-50
File Comm View Options
TS @ B ?
OMC | Modification typical
B OMC A :

& Tools
-3 OXO-AAPP-SIP-50
@ Customer/Supplier Info
&& Installation typical

R Modification typical

Subscribers

T —

Defauk Numbering Plans Instalation m':;/

Date and Time

I Software Key I

Management Password

Together with your telephone system, you have

B d  been given two software keys. Please enter
these keys below to enable all telephonic
features you have bought

Main software key

Hardware senal number

f105cac!

2BSCECTRWF2BJCPIVZAAIVKFUXRILV/G

Y2WNV(SN %5453 FK/YHBOBCET T B$EK YA4$RF
(UX@EEVA3T 4848w H+/USHE JVASEIZHWOWS+

HZB)@P
+3+"A422T65V/KLBEDJEZTELXXARE 7KEZ7Z0 A N@PRWCYAQSGN

CTI software key

2BSQBK$$$VGIHZZKZ58K7Z70KIG776G 3FBBUISYK

’:OOJGHSBNINR@JGSGDSBY
+7XSWBESSRC@P@G260VD

+Q3GVWES/UKEBM@TFPI/NLVNYEEBRRDCIZAEX

To transmit t
y transmit the soltwase keys pre

To see the software key features press
Service
Date Duration (months)
2 |-|2023 75

IWR IX Range with OXO from Aiphone

3X7YR™SC/HABVH($M KNZFL2URSS

frm—
Software Key Features

: [N
Voice commurécation Mulli-ste  System features  Call facilites Network Management CTI

0X0 Model Type Standard

Software License Compatiilty level L0
Authorized by  Really
software key  activated

Uravessal telephony 50 50

| Open SIP Phone users 30 1)
P cf

My IC Mobide users (OTCV) 0 0

My IC Web users 50 50

Hot Desking users 2 2

Subscrbers

X
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