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7.1 Screenshots from AIPHONE IX-Support-Tool

¢ Identification Menu :

= Station Information Station Information
- ldentification Identification
ID and Password #
Time
: Number | Name Location | Station Type
“- Expanded System
lﬂ Network Settings
- System Information 0001 IXMV7 IX-MV7-*
(- Call Seftings 0002 4446 XDV IX-DV, IX-DVF(-*)
[+ Option Input / Relay Output Settij
prones y Outp 0003 4447 IXDA IX-DA
[+ Paging Settings
[+ Function Settings 0004 4448 IXS52G IX-55-2G
e ID and Password Menu :
(=) Station Information Station Information Station Information
- Identification Identification ID and Password
#
Number Name Location Station Type Administrator ID Administrator Password
---- Expanded System
¥ Network Settings
& System Information 0001 4445 IXMV7 IX-MVT7-* aiphone kA
{#- Call Settings 0002 4446 IXDV IX-DV, IX-DVF(-*) |aiphone
- Optlén Inpuﬁ Relay Output Settirl| 0003 4447 IXDA IX-DA aiphone rrraan
- Paging Settings ‘
& Function Settings 0004 4448 IXS52G IX-S5-2G aiphone
¢ Time Menu:
[=)- Station Information Station Information Station Information
i Identification Identification Time
-~ IDand Password # Time Zone
T
Number Name Location | Station Type
P Expanded System Select time zone
[#- Network Settings
Iﬂ System Information 0001 4445 IXMV7 IX-MV7-* (GMT-08:00) Pacific Standard Time (US), Tijuana
" Call Settings 0002 4446 IXDV IX-DV, IX-DVF(-*) | (GMT-08:00) Pacific Standard Time (US), Tijuana
€ Option Input/ Relay Output Setif 03 4447 IXDA IX-DA (GMT-08:00) Pacific Standard Time (US), Tijuana
Paging Settings
Function Settings 0004 4448 IXSS2G IX-S5-26 (GMT-08:00) Pacific Standard Time (US), Tijuana
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[#- Station Information ~ Station Information Network Settings Text in red are require
[=- Network Settings Identification IP Address
# - IPv4 Address
- DNS : )
o Number | Name Location | Station Type IP Version | Static/DHCP | IP Address ISubnet Mask }Defaultsatevay
Multicast Address 12 JaJa [1 ]2 ]a Ja [1 ]2 ]a [a
Video 0001 4445 IXMV7 IX-MV7-* 1Pv4 192 168 1 10 255 2556 265 0 192 168 1 1
Audio 0002 4446 IXDV IX-DV, IX-DVF(-*)  |IPv4 Static 192 168 1 11 255 255 255 0 192 168 1 1
Packet Priori
TP i 0003 4447 IXDA IX-DA 1Pv4 Static 192 168 1 12 255 266 256 0 192 168 1 1
(& System Information 0004 4448 1XSS2G IX-55-2G 1Pv4 Static 192 168 1 13 255 255 255 0 192 168 1 1
e DNS Menu :
&- Station Information 7S | Station Information Network Settings
- Network Settings Identification DNS
IP Address . Primary Server \
Number | Name Location | Station Type 1Pv4 [
SIP | T IPV6 '
Multicast Address | | | 1 |2 ls [4 |
Video 0001 4445 IXMV7 IX-MV7-* 192 168 1 1
Audio 0002 4446 IXDV IX-DV, IX-DVF(-") |192 168 1 1
::‘:E'Pm’"w 0003 4447 IXDA IX-DA 192 168 1 1
- System Information 0004 4448 1XSS2G 1X-55-2G 192 168 1 1
e SIP Menu :
@ Station Information A | Station Information ook ScY lext
= Network Settings Identification SIiP
IP Address # o SIP Connections Primary Server
DhS Number Name Location | Station Type
SIP Signaling Port | User Agent D Password
Multicast Address X 1 | 1 1 1
Video 0001 4445 IXMV7 IX-MV7-* 5060 4445
Audio 0002 4446 IXDV IX-DV, IX-DVF(-") 5060 4446
::‘:“ Erionty 0003 4447 IXDA IX-DA 5060 4447
&- System Information !4443 IXS52G 1X-55-2G 5060 4448
o
¢ Multicast Address Menu :
@- Station Information A S!anon Information VNetwork Settings
= Network Settings Identification Multicast Address
|P Address # Master Station: For Call / Paging, Video Door Station: For Call
DS Number | Name Location | Station Type IPv4
SIP —— IPv6
Video 0001 4445 IXMV7 IX-MV7-* - o 0 1
Audio 0002 4446 IXDV IX-DV,IX-DVF(-) |224 0 0 2
Packet Priori
"i:‘“ Y 0003 4447 IXDA IX-DA 24 0 0 3
o
e Video Menu :
&- Station Information = .Siation Information Network Settings Textin red are required settings.
£ Network Settings Identification Video
- IP Address # Video Encoder 1
DNS Number Name Location | Station Type
sip Video Codec | Resolution Fran| Select Pro| I-picture inter| Bit rate [kbp| RTP Start Port) RTP End Port
Multicast Address | |
0001 4445 IXMV7 IX-MV7-* 30000 31000
Audio 0002 4446 IXDV IX-DV,IX-DVF(-") |H264/AVC  640x480(VGA) 15 Baseline 15 1024 30000 31000
':iimp'm” 0003 4447 IXDA IX-DA H264/AVC  320x240(QVGA) 15 Baseline 15 1024 30000 31000

o Audio Menu:

IWR IX Range for OXE from Alphone
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@- Station Information = | Station Information Network Settings Textin red are required seftings
= Network Settings Identification Audio
IP Agdress #
DNS
sp Number Name Location | Station Type Audio Codec Audio RTP Transmission Interval [msec] | RTP Idle Detection Time [sec] | Audio 1 RTP !
Multicast Address
Video 0001 4445 IXMV7 IX-MV7-* 20 10
0002 4446 IXDV IX-DV, IX-DVF(-)  RERARIT 20 10
Packet Priori 711
ty 0003 4447 IXDA IX-DA G (Ariaw) 20 10
NTP G.722
&) System Information 0004 4448 IXSS26 1X-55-26 : 20 10
e NTP Menu:
& Station Information - | Station Information Network Seftings Text in red are required settings.
- Network Settings Identffication NTP
IP Address # Primary Server Secondary Server
:::5 Number Name Location | Station Type Enable NTP Synchronization Interval [hour] | Address e Address
o
Multicast Address | - 2 — =2
Video 0001 4445 IXMVT IX-MV7-* v 24 ntp.pool.com 123
Audio 0002 4446 IXDV 1X-DV, IX-DVF(-) | Yes 24 ntp.pool.com 123
Packet Priority 0003 4447 IXDA IX-DA Yes 24 ntp.pool.com 123
& Sysiem 0004 4448 IXS52G 1%-55-26 Yes 24 ntp.pool.com 123
. .
e Station Information Menu :
®- Station Information ~ Station Information Call Settings
= Network Settings Identification Station Information
IP Address #
N
:IPS Number Name Location Station Type Call Button Function
Multicast Address 1
- Video 0002 4446 IXDV IX-DV, IX-DVF(-") Call, Answer Call, End Communication
Audio 0004 - 1XSS2G 1X-S5-2G Call, Answer Call, End Communication
Packet Priority
NTP
- System Information
& Call Seftings

I Station Information I

e Address Book (For Master Station) Menu :

Station Information A
Network Settings

1P Address

DNS

SIP

Multicast Address

0001

Station Information ‘Address Book Text in red are required seftings.
Identification “ 4446 4447
I IXDV /1X-DV, IX-DVF(-*) IXDA/IX-DA
Number Name Location Station Type
Select Network Camera Select Network Camer:
s o | O .

Video
Audio
Packet Priority
NTP
System Information
L R

e Called Stations (Door/Substations) Menu :

IWR IX Range for OXE from Alphone
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[&- Station Information
= Network Seftings
IP Address
DNS
~SIP
Multicast Address
~Video
~ Audio
Packet Priority
= NTP
System Information
Call Settings
Station Information
Called Stations (Master St

o8

Called Stations (Door/Sut

7
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A Station Information Call Settings Text in red are required settings.
Identification Called Stations (Door/Sub Stations) |
# [ Total | Group 01
Number Name Location Station Type Number / Name / Station Type
| 4448 /%5526 /X 5526 | 4480 /Emergency 1 volP Phone
002 4446 XDV XDV, XDVFC) 3 u u
0003 4447  IXDA X-DA 2 e
0004 4448 IXSS2G X-55-26 2 u

e VolP Phone Registration Menu :

LA dDUppOrt 1001

Category Video Staton  Stason Typa (X-DA.

Station View

Row

Number of Notes 5 [7 1= Unicast, M
1 cesignating M|

181X Support Tool - Mo Phone Registration]

2 it )

Sl |

VolIP Phone Registration

[Disptay Seftings|

Group 01 v

VolP Phone Registration

‘Certain charactars may not be displayed comectly on [X-MV7-* dus 1o font type

To delete Vol Phone. 3l Ine sems must be biank

4 Staton informaton A
= Network Seaings
1P Address B

Packet Priorty

# System inormation
Call Satings

Called Stations (Master I
Called Stations (Door/Sut:
Call Onginaton

e Call Origination :

- Station Information A

- Network Settings
- IP Address

Packet Priority
NTP

Siaon st Teiedss wepkedseinas ]
Name L.
Emergency

It ext n red ave roquired settngs

4450/ Emergency I VoI Phone.

o

Station Information
Identification
Number | Name
IXMv7
XDV
IXDA
IXSS2G

4447

Call Setings

Call Origination

Call Button

Call Timeout
Select
10-600 sec

Call Method Ringback Tone

Call Pattern 4
1X-DV, IX-DVF(-") | Standard Destination
IX-DA ‘Standard Destination

Call Pattern 1 10-600 sec

Call Pattern 1 10-600 sec

10-600 sec

Call Pattern 1

- System
Location Registry
Address Book
Group (for Master)

- Custom Sound Regisiry

- Call Settings
Station Information
Called Stations (Master S1
Called Stations (Door/Suk

[T

e Relay Output :

Text in red are required seftings

Standard Mode S
Ringback T
Call Destination

10-600 sac
60 Infinite
60 Infinite 01
60 Infinite 10
60 Infinite 01

kR |2 When setto biank, it will perform in association with the eontact change of Relay Output 1 on all SIF command originating stations.
< >
Video ~ Station Information Option Input / Relay Output Seftings Text in red are required settings.
Audio Identfication Relay Output
Packet Priority # F Relay Output 1 {Output Time is valid when Relay Output function is set to Door Release or is controlled b| Relay Output 1
NTP Number |Name |l Station Type ) Sound Settings
- System Information Output Time Range | Output Time: Door Release Authorization
Location Registry 1 | _Doof Release
Address Book 0001 - XMV7 IX-MV7-* 200-2000 [msec] 400 66092508657547818628 Operation Sound
Group (for Master) 0002 4446 IXDV IX-DV, IX-DVF(-*) 200-2000 [msec) 400 51849657395646761575 Operation Sound
& caucs“;“:r"“o:“"”u ReOSTY N oo0s 4447 IXDA X-DA 200-2000 [mseq] 400 15846161839581737594 Operation Sound
Station 0004 4448 IXSS2G IX-55-26 200-2000 [msec) 400 80514637145702775651 Operation Sound

Called Stations (Master St
Called Stations (Door/Sut.
Call Origination
Incoming Call

= Option Input / Relay Output S¢
Option Input

IWR IX Range for OXE from Alphone
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e Absent Transfer :

Address Book

Group (for Master)
Custom Sound Registry

& Call Settings
Station Information
Called Stations (Master St
Called Stations (Door/Sut
Call Origination
Incoming Call

&+ Option Input / Relay Oulput S¢
Option Input
Relay Output

- Paging Settings

- Function Settings

= Transfer Settings

e Delay Transfer :

Station View

Address Book
Group (for Master)
Custom Sound Registry
& Call Settings
Station Information
Called Stations (Master St
Called Stations (Doer/Sut
Call Origination
Incoming Call
= Option Input/ Relay Qutput Se
Option Input
Relay Output
@ Paging Settings
% Function Setings
& Transfer Settings
Absent Transfer

Schedule Transfer

Address Book =

Group (for Master)
Custom Sound Registry
- Call Setings
Station Information
Called Stations (Master 51
Called Stations (Door/Sut
Call Origination
Incoming Call
- Option Input / Relay Output S
Option Input
Relay Output
Paging Settings.
Function Settings
Transter Seftings
Absent Transfer

G

Station Information Transfer Settings. Text in red are required settings.
Identification Absent Transfer
# Transfer Destination List Re-Transfer Dest
Number | Name | | Station Type Absent Transter Number
Station List Station List
No.02 No03 No04 NoO5 No.06 [NoO7 No08 No02 No10
0001 4445 IXMVT IX-MVT-* Enable Open “ Open
- AV G SEUMGR. | | RATISIET LSUNEUOn
Station Information Transfer Seftings Text in red are required settings.
Identification Delay Transfer
# Transfer Destination List Re-Transfer De
Number | Name |1 Station Type |Delay Transf Delay Time [ Number
‘Station List | Station List
No02 No.03 No04 [NoO5 No06 NoO7 No08 No09 Noi10
0001 4445 IXMVT IX-MV7-* Enable 30 Open Open

Schedule Transfer :

0001

Station Information

Identification
Number | Name
4445 IXMVT

Transfer Seliings
Schedule Transfer
Weekly Schedule (Sun) 01
| Station Type | Schedule Transfer | Transfer Destination List
Station List I No.01
IX-MVT-* Enable Open -

No.02

IWR IX Range for OXE from Alphone
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7.2 Screenshots from test lab

IWR IX Range for OXE from Alphone

[Related Settings]
Row ous | | Next
Table View Add Station | | Remove Sta
| Display |
Mumber of Notes:3 |1 | ocations must be created in the Location Registry before they can be assigne:
Station View 2. Station Type cannot be changed once registered. To modify, station must be re
=~ Station Information Station Information
Identification Identification
ID and Password #
Time . )
MNumber Name Location Station Type
Expanded System
- Network Settings
- System Information 0001 12116 mv7 M7
E-Call Settings 0002 12117 dv IX-DV, IX-DVF(-)
Station Information
_ flooo3 12118 da 1X-DA
Called Stations (Master Statiq
Called Stations (Doon/Sub stjf 0004 12119 ss2g XSS-2G
Call Qrigination I}
Inrmraina Call
Table View Row Previous | | Next
| H Display ‘
Numberof Notes:'5 |1 Unique password recommended for each station
Station View 2. Set a strong password that is difficult to guess.
Station Information Station Information Station Information Textin red are requiret
Identification Identification ID and Password
.
Time Number Name Location Station Type Administrator ID Administrator Password UserlD | User Password ONVIF ID ONVIF Password | RTSPID
-~ Expanded System
Network Settings
System Information o001 12116 mvi IX-MV7-~ aiphone: i
= Call Settings 0002 12117 dv 1X-DV, IX-DVF(-*}| aiphone
Station Informaticn 0003 12118  da IX-DA aiphone
Called Stations (Master Statiq Ik
- Called Stations (DoorSub Stff 2904 121 529 %5526 aiphone B
-~ Call Origination
- Incoming Call
[Related Settings]
Row Previous | | Next
Table View
| ispiay |
Station View
- Station Information Staticn Information Statien Information Textin red are
- Identification Identification Time
~ID and Password # Time Zone Daylight Savi
Time Number Name Lecation Station Type
Expanded System Selecttime zone Enable autor
Network Settings
System Information 0001 12116 mv7 IX-MV7-+ (GMT+01:00) Brussels, Madrid, Copenhagen, Paris
B Call Settings 0002 12117 dv IX-DV, IX-DVF(-"}| (GNIT+01:00) Brussels, Madrid, Copenhagen, Paris Yes
Station Information Joooz 12118 da IX-DA (GMT+01-00) Brussels, Madrid, Copenhagen, Paris Yes
Called Stations (Master Statiq
- Called Stations (Door/Sub St 0004 12119 5520 IX-585-2G (GMT+01:00) Brussels, Madrid, Copenhagen, Paris Yes
-~ Gall Origination Ik
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[Related Settings]
Row Pre:
Table View Batch IP Address Configurati
|| Display ‘
Number of Notes:1 |1 Changing the IP Address , Subnet Mask , IP Wersion , Static/ DHCP will require the station to be re-associated
Station View 'Once associated, the setting file will also need to be uploaded to the stationis).
Station Information Station Information Network Settings Textin red are rec
Network Settings Identification IP Address
ek # 1Pv4 Address IPvB Addre:
DNS
Number Name Location Statien Type Hostname IP Version | Static/ DHCP |IP Address Subnet Mask Default Gateway
SIP IP Address
Multicast Address ! ‘2 |E ‘4 ! |2 ‘3 |4 ! ‘2 |3 ‘4
Video 0001 12116 mv7 IX-MV7-* P4 Static 10 1 4 10 255 255 o o 10 1 255 254
Audio o002 12117 dv IX-DV, IX-DVF(-*) P4 Static 10 1 4 11 255 255 o o 10 1 255 254
Packet Priori
ty 0003 12118 da IX-DA P4 Static 10 1 4 12 255 255 o o 10 1 255 254
NTP
System Informatien 0004 12119 5829 IX-55-2G P4 Static 10 1 4 13 255 255 o o 10 1 255 254
Call Settings
Row Previous | | Next
Table View
|| Display |
Station View
Statien Information EE e Network Settings Textin red are requ
Network Settings Identification DNS
# Primary Server Secondary Server
Number Name Location Station Type 1Pv4 IPv4
IPv6. IPvG
1‘2‘3|4 1|2‘3‘4
0001 12116 mv7 IX-MV7-* 10 1 2 15
0002 128117 dv IX-DV, IX-DVF(=*)( 10 1 2 15
Packet Priori
e v 0002 12118 da IX-DA
System Information 0004 12119 ss2g IX-55-2G 0 1 2 15
= Call Seftings
Gtatinn Infrrmatinn -
[Move to Related Settings]
Row Previous | [ Next
e
Number of Notes:2 {1, To set VolP Phone Valume Adjustment, go to “Station Settings - Volume/Tone > Volume -> VolP Phone Volume Adjustment”
Station View [2. To set VolP Phone Call Priority, go to"Call Settings - Incoming Call-> VoIP Phone Call Priority
Stonimormaton | Station Information Network Settings Textin red are required sett
- Network Settings Identification sp
~IP Address # SIP Connectior Primary Server Secondary Server Tertiary Server [y
o Number |Name | Location | Station Type ‘ | ‘ ‘
SIP Sign| User | ID Passw/IPd Address | IPVBA(Port | 1D Passw IPvd Address |IPV6 | Porl |ID | Password| IPvd Address | IPV6 Address Port R
Mullicast Address
Video 0001 12116 mv7 DMV 5060 12116 = etesting2stesting 5060 12116 **t 10.10.11.20 5060 5060
Audio 0002 12117 av IX-DV, IX-DVF()| 5060 12117 ' elesting2etesting 5060 12117t 10.10.11.20 5060 5060
Z:f:e‘ Priorty 0003 12118 ca IXDA 5060 12118 T 10161 5060 12118 *  1010.10.11 5060 12118 " 10.10.11.20 5060
System Information 0004 12119 ss2g X552 5060 12119 = etesting2stesting 5060 12119 10.10.11.20 5060 5060
- Call Sefiings
[Move Io Relaed Setings]
Row Nest
Videa Encocer
Dispiay
Number of Notes:3 1 nems marved [H.264 | AVC) of [Mction-JPEG] 39ply Gnly 1 Melr respective Coaing System.
Station View 2 The “Video Encoder 1" RTF End Porl shoud be greater han 80 digis rom the RTP Start Fort
P ‘Staon Information Network Setings “Taxt in red ara required 3atings
% Network Semngs idsntifcation Video
P Aadrezs # Video Encoder 1 Vidao Encodar 2
ons Number  Name | Locath Station Type
sp VigeoCossc | Resolution HZB4 1 AVC) 2621 AvC] [ RTF Stan Port| RTF Ena Port | Second Vises ENG Vioeo Cods) Resolution
Mulcast Asoress
vieo 0001 12118 7 IXMVT-* 30000 31000
Autio 0002 12117 v DDV, IX-DVFI-)| H2ZB4/AVC 640x480(VGA) 15 Main 5 1024 30000 31000 Enable H2B4AVC 1280x960iSXVE Ly
PacketFriory 0003 12118 da %-DA H2B4AVC B40RAB00VGA) 15 Main % 1024 ] 30000 31000 Enable H2BUAVC 320x240(QVGA
Row = 4
Display
Number of Notes:3 (1. The Audio 1 RTP End Port should be grester than 210 digits fom the RTP Start Port ]
Station View 2. The Audio 2 RTP End Port should be greater fan 10 digits fram the RTP Start Porl ~
& Station Information e Network Settings et i re 16 required SEingS.
£ Network Setlings igentncation Ao
1P AGdess M T T Audio Bufter
o3 Mumber |Name |Loca{SwmionType |AuSoCodec | Audio RTP Transmission interval [msec] | RTP idie Deteclion Time [sec] |Audio 1 RTP StanPorl | Audio | RTPEndPorl | Audio 2 RTP Start Porl | Audia 2 RTP End Port
s Packets Buflerad at Audio Start
Muicast Address 1 1 1 1 1 1 | |
video 0001 12116 m7 DCMVT [ 2R 0 0 20000 21000 22000 23000 1
Audic 0002 12117 dv XDV, IXDVF() | S.711(Aaw) 20 10 20000 21000 22000 23000 1
PPy won ww o won |arvan = N e 2000 o e :
& Sysiesn Information 004 12118 ss2g ss2e G711IAaN) 0 0 20000 21000 22000 23000 1
& Call Sattings
Station Information
Called Stations (Master Stats Graz
Calleg Stations (DoonSub St h
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Row Pravious | | Next
Table View
| Dispiay |
Nurmber of Notes:1 |1 Changing VLAN settings will cause station to restart after Updata is clicked. This will take a few minutes
Station View
Station Information Station Information Network Settings
=1 Network Settings Identification Packet Priority
- |P Address #
;I:‘S Number Name Locati| Station Type TOS Value (Audio) | TOS Value (Video) | TOS Value (SIP)| VLAN Setting VLANID VLAN Priority
- Multicast Address
- Video 0001 12116 mv7 IX-MV7-* 0x00 0x00 0x00 Disable 1 0
Audio 0002 12117 dv IX-DV, IX-DVF(-")| 0x00 0x00 0x00 Disable 1 0
-3
NTP 0003 12118 da IX-DA 0x00 0x00 0x00 Disable 1 0
System Infermation 0004 12119 ss52g IX-55-2G 0x00 0x00 Disable 1 0
- Call Settings
Previous | | Ne:
Table View Row iou: xt
|| oisplay |
Station View
Smtion Informaton Station Information Network Settings
- Network Setiings Identification NTP
i+IP Address # Primary Server Secondary Server
NS Number | Name Locali| Station Type | Enable NTP | Synchronization Interval four] | Address ‘ Address |
SiP Port Port
Multicast Address. F2 P35 ‘ RE Yo |
Video 0001 12116 mv7 IX-MV7-+ Yes 110161 123 10.10.10.11 123
Audio 0002 12117 dv IX-DV, IX-DVF() | Yes 1101215 123 123
e‘ Friority 0003 12118 da IX-DA Yes 1101215 123 123
System Information 0004 12119 ss2g 1X-55-26 Yes 1104215 123 123
Call Setings
Row Mext
Table View
" Display |
Station View
- Station Information Station Information Call Settings
H- Network Settings Identification Station Information
t- Systemn Information #
= Call Seftings ’ ’ ;
0 Number MName Locati| Station Type Call Button Function
Called Stations (Master Stati
Called Stations (Door/Sub St 0002 12117 dv IX-DV, IX-DVF(-*})| Call, Answer Call, End Communication
Call Origination 0004 12119 ss2g IX-55-2G Call, Answer Call, End Communication

Inceming Call
H- Option Input / Relay Output Settir

i Banina Catinae

Table View

Station View

H- Station Information

t- Network Settings

H- System Information
—I- Call Settings

- Station Information

ati

Stations (Door/Sub St
Call Crigination
- Incoming Call

R A R A

IWR IX Range for OXE from Alphone
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sy e
Group 01

e ]
VoiP Phone Registranon

Colu

E—

Humber of Holes 5

T U= Unicast
f desiarating

M= Multicast

P —— Station information Call Seings Textin red are tequired sefings
4 Network Setiings Identiication Called Stations {DocrSub Stations)
- System information M Toial | Growp
= Call Setlings
Mumber | Mame | Locati{ Staton Type Number | Mam | Station Type

Station Informaion

Caned Staons (Maer Stal AZVIGL VT §GCMVT-"| 12117 /0w DDV, -DVF') | 121187021 0C0A | 12119/ 5820 1 1X-55-2( 12126/ LINPROne MAC { VoI 12127 / B078S/VoIF 12137 / HUNIGrOURSIP 1 WoiP | 12138/ 808B SIP 1Ve- | 12153/ 8038/ Vol

Casea Stations (Doonsub St 0002 o XDV, DV 1 u

Can Origination 0003 12118 da 1X-DA 0

coming Oal 0004 12118 ssig 8820 1|8
# Opbon
) Paging Setings
# Function setoags

R Col [Display Seftings] [Related Setings]
ow Presious olumn
Graup 10 | | WolP Phons Registration

Display

Dispiay

Humber of Notes's ‘

1. U= Unicast M= Mucast
I designating "M, multicast IP addresses must be configured for the statien{s)

Call Setirgs Teat n red are required settngs
Network Settings Identification Called Stabens (Door/Sub Stabions)
Systemn information s pr—y
£ Call Setings Mumber | Name Humber / Name J Station Type:
Station Information T T T
Called Staions (Mastar Stat | 12118/ mv7 /GAVT-* | 12117 v/ IX-DV, DX-DVF( 12118/a/ DA | 1211913520 /X-55-2G | 12126/LinPhone MACVolP | 12127/ BO78S /VolP Phione | 12137 / HUMGroupSIP IVolP Phone - 12138/
Called Staions Doorsubstf 0002 12117 av =
Call Originaton o003 12118 da v
fncaming Call 0004 12119 sa2g
- Opbon Input  Relay Output Setif Iy
& Paging Setings
[Display Settings] [Related Settings]
Previous | | Next -
Group 10 V‘ | volP Phone Registration
” Display ‘
or {he station(s)
& X Support Tool - [VoIP Phone Registration] X
i _
0f VolP Phone Registration
To delete VolP Phone, all line items must be blank.
Centain characters may not be displayed correctly on IX-MV7-" dus to font type. nPho
Station List Textin red are required settings. |
# Nurmnber ‘ Name Location )
12126 LinPhone MAC
ooo2 | 12127 80785
0003 | 12137 HuntGroupSIP
0004 | 12138 8088 sSIP
0005 | 12153 8038
0006 | 12155 B08BAPPAMphite
0007 | 12226 80685 12226
ooos
ooog
o010
o011
0012
nn1a 4
TEN [FTet
o 82
2 ‘ Update ‘ ‘ Cancel ‘ s 11
12 5 670
= [Display Setings] (Move to Retated Seftings|
Row Cal Bution ] weskly Scneduie] [Daily Schedule] ~ Display Range [CailMetod -
| Display Schedule View Adjustment | |1607/2020 ~| 1 ~ - [3 ~| | Change to Daily Scheduie Display
Humber of Notes3 [11x-SPMIC can anly be set 1o Call Butio” for Call Origination seftings
Station View 2. The schadule is aulomatically sorted by Start Time aflar updating.
@ Station Information ehaon i) Call Seltincs Tet in e aré fequi
(1 Network Setings dentficaton Gall Origination
- System Information = Call Busion
= Call Seftings. Number | Name Locat) Station Type Call Timeout Standard Mede Seflings Destination Dwedl 1 Destingtion Dwell 2 Destination Dweil 3 Destir
Station Information Call Method Ringback Tone Ringback Tony . T
Called Stations (Master Statq | Select 10600 sec Call Destinaton | Priorty | Call Destination | Priority | Call Destination | Priority | Call Destination | Priorlty | Call C
Caled Stabons (Doorisus SUJOBRRN 12118 mv? XMVT CallPatlem? 10600 sec ® Infinge
call ongination 0002 12117 ov IX-DV. IX-DVF(")| Standard Desiinalion ~~ Call Fallem 1 10-800sec 80 Infinte 01 Nomal Hormal Homal Normal
~ Incoming Cail o003 12118 aa X-DA Standard Destination Cail Pattemn 1 10-600 sec. 60 Infinite 10 MNommal
(4 Option Input Relay Outpus Set
0004 12119 s X-55-26 SwncwaDestnation  CallPaflem1  10-800s8c & e 01 Homal Nomal Nomal Normal
) Function Seftings.
% Transter Setings
(5 Station Setings
& Maintenance

IWR IX Range for OXE from Alphone
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Column Next
e e |
Station View
- Station Information Station Information Call Setings
Network Setiings Identification Incoming Call
System Information # Call Answer Settings | Ringtone 0001 /12116 /mVF | FIX-MVT-*
Call Setings.
o N Number | Name | Locati Station Type Call Button ‘c
-~ Station Information Auto Answer Ringtone Ringback Tone Count fime(s
Called Stations iMaster Stati ol (Fziiy Urgent ‘ N
Called Stations (DeonSub St 0001 mv7 IXMVT-+ OFF - 5 B B
+ Call Crigination 0002 12117 dv IX-DV, IX-DVF(-*)| ON Call Patiern 4 Infinite - - - -
Incoming Call
by 0004 12119 ssg 1X-55-2G ON Call Pattern 3 Infinite - - - -
Option Input / Relay Output Seti
Paging Setiings
jAaEunctiog Saitinoe \Uispiay semngs| [MOVE TD HeIAET Semngs]
Table View ‘ How ' Relay Output 1 | MWeetly Schedule] [Daily Schedule]  Dispiay Range Name
Display Schedule View Agjustment | 16072020 ~| [1 ~ -8 - Scheduls Display
Mumber of Notes 8 |1 Contact Changa SIF Event is associatad with Change Contact of Relay Output 1 from SIF Origination Station.
Station View J2- When set o biant, it wil perform in association with the contact change of Relay Output 1 on ai SIF comm:and anginating stations.
3 Staton information Siaton Information Optan input/ Relay Output Sefings Textin red are required se
# Network Settings. Igentiication Relay Oulput
Sysiem Information = Latch Trigger Event 1 Relay Output 1 Reiay Output 1 (Qutput Time Is valid whan Relay Ouut unction 1 set 1o Door Relea] Reiay Output 1
L cals . | . I & |
Cal Sefinos Number | Name | Locati SisfionType  |Co Contact Changs SIF Event Sound Satings
Station Informaton Latch Resst Trigger Event | Option Retay Contral Gutgut Time Range. | Culput Time | Door Releass Authorization
Called Sialions (Master St It | | Number | Station List Dour Release Relay Control (star)
Called Stations (Door/Sub St XAV Disable 200-2000 [msec] 400 28111862734B36757838 Operalion Sound Hone
Call Origination 0002 12117 v XDV, IXCDVF(-)] Option Input Disable 200-2000 [msac] 400 1234 Opéralion Sound None
Incaming Cal
1218 @ x-DA 200-2000 400 1234 Cparation Sound
& Oplion Input / Relay Gutgut Sattr) ==l
Opton il 0004 12119 sszg %5526 ‘Option Input Disable 200-2000 [msac] 400 1234 Operation Sound None
Pagina Setings.
e Row Column
Number of Notes 1 [1 When using IX-MY, [X-DA and [X-BA with oer X serias slabans, do nol sel ‘Output Tima Range" 1o D (Momentary]"in “Option Ingut  Relay Outpul Sefings.
Station View
& Stavon Informaton - Staton informaton Funceon Semings Textin red are required sefings.
(& Network Settngs dendfication Door Release
(& System Information " Door Resease Assignmant
& Call Seting:
o " Numbsr |Name | Locali{ StafionType | 0001/ 12116/mv7 f | XC-MVT-- 0002112117 /v 1 IX-DV, X-DVF-") 000312118/ da  {X-DA 000471219/ 5520/ X-55-26
% Oplion Inpu { Retay Oulput St
& Paging Setings eni | Ausrentication Key c Contact Assignment | Authenéication Key
& Functon Setings o001 12116 mT IXMV7 - Destinalion Siation 1234 Desiinaiion Sialion 1234 Desiination Siaflon
Door Releasa
Network Camera infegrat
Faging Seitngs
Bathroom Call
Email
Row Pre
Table View

Number of Notes:2 1. 1x-Mv7-* can set Max. 10 Transfer Destinations and Max. 1 Re-Transfer Destination.
Station View 2. 1X-MV can set Max 1 Transfer Destination.

Station Information Transfer Settings

Option Input / Relay Output S ~
-Paging Setiings Identification Absent Transfer

Function Settings # Transfer Destination List Re-Transfer Destination
DoorRelease Number |Name |Locati StaionType | Absent Transfer [Number
Network Camera Integrati Station List

Paging Seftings [No01 [No2 [Nooa N0 [Noos [Noos [Noo7 [Noe [Noos [Noto
Batroom Call 0001 12116 7 IX-MVT-+ Disable Open | [ Open |
Email
cal
SIF
Record

Station List Number

Communication Audio Me
Chime

CSR

SSL Certificate

IEEE 802.1X

Display Mode

Bathroom Link b
-Transfer Settings.

Delay Transfer
Schedule Transfer

Row

Number of Notes:2 1. Ix-hV7-* can set Max 10 Transfer Destinations and Max. 1 Re-Transfer Destination.
[2. DMV can set Max 1 Transfer Destination.

Table View

Station View

Option Input/ Relay Output S A SEID MFnesTy ‘Transfer Settings

Paging Settings Identification Delay Transfer
Function Seftings # Transfer Destination List Re-Transfer Destination
Door Release ‘

Number |Name | LocaliStationType | Delay Transfer | Delay Time [sec] mber
Network Camera Integrati Station List

Paging Setings
Bathroom Call 0001 12116 mv7 ranva Enable 10 Opn | 12128 [ open |

StationList | Number

Nus
‘Nom ‘NODZ ‘NODB‘NOM ‘NOOS ‘NoDG ‘NODT ‘Nol)a ‘NODD ‘Noﬂ)

Email
cel

SIF

Record

Communication Audio Me
Chime

csR

SSL Certificate

IEEE 802.1X

Display Mode

Bathreom Link

Transfer Sefings

Absent Transfer N

Schedule Transfer
Lock Transfer
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Dispiay Semngs) Mot 5 Hetatea Semrgs)

Table View Row E [Wisekly Scheoule] [Daily Schesule]  Dispay Rangs Seneduia Transfer
Display Scnecule View Adusment | [16072020 +| [1 - - | [ Ghange 1o Dy Scheauis Dsplay

can sel Miax 10 Tranler Desi

rferdostination can b sot o

Nurmber of Notes §

‘Re-Transler Destnation each day of he week
ot Diestnason List o, 01 in “Sun 01

Station View

T Opton mput Relay OUpALS A ‘Station Information Transter Semngs Textin red are required sesing

# Pagng Setings identication Schecule Transter

& Eunclion Seings. = Weeidy Schedule (Sun) 01
Door Release
Netwerk Camesa niegrali
Paging Semngs suionList | Mo01 Moz Mooa No.g4 No.0s No.0B Noo7 No.oB No.0g No1o ‘Station List

b o oo KN wwrs [owse  Com] [

Emai
cal

Mumber  Name | Locali Slalion Type | Schecule Transter | Transher Dessination List Re-Transter Des

SIF
Record
Communicaton Audia b
Chime

csr

SsL Catiicate

IEEE 802 1X

= Transter Satings
Absent Transter
Delay Transfer

1 ot Tearete
[Move 1o Related Setings|

Previous | | Next
[Enter Number]

Number of Notes:2 |1 For IX-DV, IX-DVF(-"), and IX-SSA(-*) "Receive” is the setting of the receive volume while communicating. For other stations, "Receive” is the setting of the raceive volume while communicating and paging

Station View |2. For IX-DV, IX-DVF(-"), and IX-SSA-"), "Paging” is the setting of the receive valume during paging.

Record 7 Station Information Station Settings.

[ Audio Me Identification Volume i Tone

Chime # Volume Tone.
SR Number |Name | Locati| Station Type:
SSL Certficate ive | Transmit |Receive | Extemalinput | ExtemalOutput | VoIP Phone Volume Adjustment | Ringlone | Paging Buiton Feedback | Communication Tin
IEEE 802.1X
Display Mode 0001 12116 mvT IXMVT- 2 No Adjustment

Enable Error
Bathroom Link 0002 12117 v IX-DV, IX-DVF(-)| 2 2 No Adjustment
Transfer Settings

Apsent Transfer

Delay Trangfer
Schedule Transfer
Lock Transfer

Station Setings

Speed Dials / Favorites
Privacy

Valume | Tone
Gommunication N

& Error
0003 12118 da IX-DA 2 2 No Adjustment

©ow o o

Error

0004 12119 ss2g 1X-55-2G 2 2 No Adjustment
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8  Appendix C: ALE side CONFIGURATION

8.1 OXE Management overview

The configuration and management of OmniPCX Enterprise can be done from Console (SSH to OXE then
connect as mtcl user and use “mgr’ command) or using web Graphical User Interface into a WEB Browser
https:://IP@orDNSofOXE and connect also as mtcl user.

The following screenshots were done using the Web GUI.

8.2 SIP Gateway management

etesting2.etesting lab

SIP Subnetwork 15

@» W

SIP Trunk Group 1

1P Address 10161

Machine name - Host etesting2

SIP Proxy Port Number 5060 3

SIP Subscribe Min Duration 600 E
26400 S
180 S
0 s

RE_INVITE
etesting lab
DNstype DNS A
@ SIP DNS1 1P Address 101215
@®
® SIP DNS2 1P Address
@
® [ s0p in 18
=
@ i SIP To CH Error Mapping CACSIP-SIP
@ i CHTo SIP Error Mapping INFO method for remote extension
ReCa284 mine
Dynamic Payload type for DTMF 97 5
Overflow Licenses Threshold 20 S

@ i SNMP Configuration
(R) Reinbow
[ Cloud Connect

8.3 SIP Proxy management

Authentication mode set to SIP Digest:
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etesting2.etesting.lab

~
® 3 Users
@® =
® am Users by profile SIP initial time-out 500 E]
® i Set Profile SIP timer T2 4000 Iy
® 22 Groups
@ @ Speed Dialing DN Timer overfiow 5000 E]
@ R Phone Baok
@ @ Entities Timer LS 0 5
@ i Trunk Groups
Recursive search
@ @ Exernal Services
@® & Inter-Node Links Minimal authentication method SIP Digest
@ s
@ i DATA Authentication reaim etesting?.etesting b
@ @ Applications
Only autnenticated i
@ £ Spedific Telephone Senvices iy eutheneated incoming cells
® i ATM Framework Period 3 .
@ i Events Routing Discriminator
® @ Security and Access Control Framework Nb Message By Period 255
Framework Quarantine Period 1800 E]
TCP when long messages
[ SIP Registrar Retransmission number for INVITE 3 El
@ @ SIP Dictionnary _
@ = SIP Authentication Degraded mode Time To Live 1800 ]
© i SIP Bx Gareway User Agent Ideriier %
@ @ Quarantined IP Addresses.
@ o Trusted IP Addresses
@ #x SIPTo CH Error Mapping
etesting2.etesting.lab
@ o Shelf A
@ 8 Media Gateway SIP inital ime-out 500
@ [] PWI/DECT System
® & Syem SptmerT2 4000
@ & Translator DN Timer averflow 5000
@ 9 Classes of Service
@ i Amendant Timer TLS £
@ & Users
@ mm Users by profile Recursive search
®
© - f:* Frofile Minimal authentication method SIF None
@ 22 Groups
@ 5 Speed Dialing Authentication realm etesting? etesting lab
@ [ Phone Book
@ i Entiies Only authenticated incoming calls
@ 9 Trunk Groups
@ i Trunk Group: Framework Period 3
@ 9 External Services
@ i Inter-Node Links Framework Nb Message By Period 255
@
@ fm DATA Framewark Quarantine Period 1800
@ i Applicaiions TP when ong messages
@) 2 Specific Telephane Services
@ i ATM Retransmission number for INVITE 3
@ @ Events Routing Discriminator
@ @ Security and Access Cantrl Degraded mode Time To Live 1800

User Agent Identifier %

8.4 SIP Registrar management

etesting2.etesting.lab
W Attendant

& 3§ Users

0] Users by profile

@ &= Set Profile

) 42 Groups

(+) &= Speed Dialing

@ [ Phone Book

SIP Min Expiration Date

SIP Max Expiration Date

® Entities

) @ Trunk Groups
& i@ External Services
® Inter-Node Links
@ 25

@ im DATA

® Applications
) = Specific Telephone Services

& aw ATM
® Events Routing Discriminator
* @ Security and Access Control
®ar
OesP

[®) SIP Gateway

[8) SIP Proxy

[ SIP Registra

® SIP Dictionnary

IWR IX Range for OXE from Alphone

@ @

E

180

26400
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8.5 SIP Trunk Group management

The Trunk Group used into SIP Gateway is number 1.

etesting2.etesting.lab

© = Translator

@® 9 Classes of Service Trunk GroupID 1
@® i Attendant
@ 3 Users Trunk Group Type ]
@ i Users by profile
@® i SetProfile Trunk Group Name sip
® 21 Groups
® B Speed Dialing UTF-Trunk Group Name
® 1 Pone Book Node number 2
@® i Entities
© i Trunk Groups Transcom Trunk Group
@® @ Baemal Services
@® @ Inter-Node Links Overflow trunk group No 4
®
@® i DATA Tone on seizure
@® i Applications Private Trunk Group
@ i Specific Telephone Services
® Q31 Signalvariant ABCF
@ . Events Rouding Discriminetor 557 signal variant No variant [+ ]
@® @ Security and Access Control
® = Number Compatible With 4
O @sp
B SIP Gateway Number Of Digits To Send 5
B SIP Proxy
[ SIP Registrar Channel selection type Quantified !
(@ @ SIP Dictionnary
@ @ SIP Authentication Remote Network 1=
© i SIP B Gareway [l storea Tk Grovp
@ @ Quarantined IP Addresses
@ i Trusted IP Addresses Auto DTME dialing on outgoing call VES

@ i SIP To CH Error Mapping
@® i CHTo SIP Error Mapping T2 Specification o
¥) i@ DHCP Configuration

D Alcatel-Lucent 829 Series

SIP Extension =
Public Network COS El 4
Encryption

®

Homogenous network for direct RTP NO

IDE®

etesting2.etesting.lab

© & Toanslator ~ Nurber Compatible With - &
@ # Classes of Service =

Py Number Of Digits To Send 5 o

@ & Auendant

®2 355’5 oo Channel selection type Quantified (]
@ i Users by profile

@ i Set Profile Remote Network 15 S

®
e
o
£

[l Shored TrunkGroup

@® i Speed Dialing
& 1 Phone Book Auto.DTVF dialing on outgeing call YES
g on ouegoing
@ @ Entities
© 8 Trunk Groups T2 Specificstion sip ]
P
@ 9 External Services Hamegenaus neswork for direct RTP NO ]
(@ 5 Inter-Node Links
@ s Public Neswork COS 3 2
®
Dara- DID transcoding
@ i Applications
(® 5 Specific Telephone Services Spedial Services Nothing
® m ATM
(® i Events Routing Discriminator Can support UUS in SETUR
® @ Security and Access Control PR — . -
® &P
© € e IMPLICIT PRIORITY
SIP Gat
] sreway Activation mode 0 S
B SIP Proxy
B SIP Registrar priority Level 0 i
@ @ SIP Dictionnary
(® = SIP Authentication
@ i SIP Bxt Gateway Preempter No -]
® # Quarantined IP Addresses ) .
@ 5 Trused IP Addresses Incoming calis Restriction COS 10 4
(& 5 SIP To CH Error Mapping Outgoing calls Restriction COS 0 <
@ i CHTo SIP Error Mapping
@ i DHCP Configuration Callee number mpt1 343 NO ]
@ B Alecatel-Lucent 889 Series
@ @ SIP Bxtension Overtap dialing Yes ]
@® & Enaryption
(@ 5 Passive Com. Server w Call diversion in ISDN NO (]

8.6 Network Routing table

This table is used to define the protocol to be used by the SIP Trunk, We use the ABC-F protocol for
Internal SIP Gateway. Into SIP Gateway, we can see that Network Number is 15.
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etestingz.etesting.lab

Shelf
® = Media Gateway
® [J PWT/DECT System
® § System

© = Translator

@ i PrefixPlan

@ i Suffix Plan

@) #m Numbering Plan
@ i PIN (Personal Ident.No.)
(@ fm Private Call Profile

@ = Bacrnal Numbering Plan

(© i Network Routing Table ) 1
@ 15- 1 - ABCF-35

@® #m Automatic Route Selection

@ i Fitered Called Number
(@ i ATM Address List
@ i Classes of Service

@ i Attendant

(® R Users

@ i Users by profile
@ i SetProfile

@ 21 Groups
@ i Speed

. Appendix C: ALE side CONFIGURATION

Network Number
Rank of First Digit to be Sent
Incoming identification prefix
Protacol Type
Numbering Plan Descriptor 1D
ARS Route list
Schedule number
ATM Address 1D
Network cal prefix
CityfTown Name

Send City/Town Name

Associated Ext SIP gateway

Enable UTF8 name sending

8.7 Users management

8.7.1 IX-MV7, 12116

etesting2.etesting lab

@ i Shelf

® i Media Gateway
@® [ PWI/DECT System
® g System

@ i Translator

® i Classes of Service
@ f Anendant

© & Users (© 7
IS] B 12116 - DMV7 - 12116 - SIP extension
®

(@ i Users by profile
@ i Set Profile

@ 21 Groups

(@ i Speed Dialing
@ {8 Phone Book
@ i Enities

@ i Trunk Groups

@ i External Services

® i Imer-Node Links

® s

@® i DATA

@® i Applications

(® = Spedific Telephone Services
®

@® i Events Routing Discriminator
® @ Security and Access Control
®ar

® @ s

(@ #% DHCP Configuration
® D Alcatel-Lucent 829 Series
@ i SIP Bxcension
@ = Encryption
@ & Passive Com. Server
@ i SNMP Configuration
R Rainbow
® Cloud Connect

etesting2.etesting.lab

@ i Shelf
@ # Media Gateway
@ [J PWT/DECT System
® & System

® i Translator
@® i Classes of Service
@® i Attendant

iy
MV7
@® i Users by profile
@ i SetProfile

@® 21 Groups

@ &= Sneed Dinlina

I General Characteristics
PIN
AssocSets
Rights
Profile
VoiceMail
Facilities
Set Characteristics
Hotel
SIP
Miscellaneous

Other.

Directory Number
Directory name

Directory First Name

UTF-& Directory Name

UTF-& Directory First Name
Location Node

Shelf Address

Board Address

Equipment Address

SetType

Subtype

Entity Number

SecFuncion

Domain Idenifer

Language 10

Secres Code

Multiine station

Can be Caled/Diaied By Name
Phone book Name (Dial by name)
Phone book First Name

Displayed Name.

General Characteristics

PIN
AssocSets
Rights
Profile
VoiceMail
Facilties

Set Characteristics

URL UserName

SIP URL Domain

SIP Authentication

SIP Passwd

Video Support Profile

Rights and Classes of Services (COS)

etesting2.etesting.lab

@ i Shett

@ # Media Gatenay
@ [ PWI/DECT System
® 8 System

@ # Translator

@ f Classes of Service
@ f Atendant

© L users O
@ @ Users by profile
@ i Set Profile

@ 22 Groups

@ i Speed Dialing

@ I Phone Baok

@ i Entities

@ % Trunk Groups

@ i External Services
@ i Inter-Node Links
@ x5

@ == nata

General Characteristics

PIN
Assoc Sets

Rights

Profile

VoiceMail
Facilities

Set Characteristics
Hotel

sIP

Miscellaneous

Other

IWR IX Range for OXE from Alphone

Cost Center ID

Cost Center Name

Charging COS

Public Network €OS.

External Forwarding COS.

Phane Features COS.

Connection €OS

Calls Priority

ABCFT2

FORCED DELETE | | Memory Re-initializatic

12116
CMVE

12116

~
o

255 =]
255 =]
255 =]
SIF extension -]

Defaukt -]

Defaukt [~ ]

YES

XMV

12116

CMVT 12116

FORCED DELETE ‘ ‘ Memory Reinitialization

12116
etesting?
12116

cee

On Demand a

FORCED DELETE | | Memory Re-initialization

285 E]

Jusified (-]

2

[

255

KL
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Voice mail attribution

etestingz.etesting.lab

@ Shelf General Characteristics
@ @ Media Gateway
- PIN
@ [ PWI/DECT System
@ & system Assoc Sers
@ Translater
(@) @ Classes of Service Rights
® tendan
\+< Aendane Profile
O L Users © i

[S] B 12116 - DMV - 12116+ SIP extension I VoiceMail
@ i Users by profile
@ & SetProfile
@ 21 Groups
@ i Speed Dicling
(@ T Phone Rook Hotel

Facilities

Set Characteristics

8.7.2 IX-DV, 12117

etesting2.etesting.lab

@ im Shelf I General Characteristics
() 5 Media Gateway -~
@ [J PWT/DECT System
® g Syseem AssocSets
@ i Translator
@ % Classes of Service Rights
@ i Atendant .
© R Users (©1hn

VoiceMail
@ i Users by profile

Facilities

@® i SetProfile

®
@ 22 Groups Set Characteristics

® i Speed Dialing
@® @ Phone Bosk Hotel
®

® #m Entities
@ i Teunk Groups

® @ External Services
@ i Inter-Node Links

SIP

Miscellaneous

@
® X5 Other
@® i DATA

®

@ i Applications
@ &= Specific Telephone Services

® Events Routing Discriminator
® @ Security and Access Control
®&Er
® Q S
® DHCP Configuration
® g Alcatel-Lucent 889 Series
@ i SIP Extension
@ 5 Encryption
® Passive Com. Server
@ i SNMP Configuration
(R} Rainbow
B Cloud Connect

etesting2.etesting.lab

@ i Shelf General Characteristics

@ @ Media Gateway

S PIN

® [] PWT/DECT System

® § system Assoc Sets

@ & Translator

@ i Classes of Service Rights

®

@ i Amendom: .
DV - 12117 - SIP device VoiceMail

@ & Users by profile

a Facilties

@® i SetProfile

® 22 Groups Set Charscteristics

@ @ Speed Dialing

@ 8 Phone Baok Hotel

@ @ Entities

@ i Trunk Groups =

@ @ Eemal Services Miscellaneus
@ @ Inter-Node Links

@ s Other

@ @ DATA

IWR IX Range for OXE from Alphone

Noice Mail Dir-No.

oice Mail Type

4630 access without Code

4645 Vaice Mail Type:

4645 Class of Service:

Directory Number
Directory name

Directory First Name

UTF-8 Directory Name.

UTF8 Directory First Name
Locetion Node

Sheif Address

Board Address

Equipment Address

SexType

Subtype

Entity Number

Sex Function

Domain Identier

Language D

Secret Code

Mutiine station

Can be Called/Dialed By Name
Phone book Name (Dial by name)
Phone book First Name

Displayed Name

URL UserName
SIPURL Domain

S1P Authentication

SIP Passwa

External Gateway Number
Gateway ype

Video Suppart Prafe

‘Support UTF8 characters set

FORCED DELETE H Memory Re-initialization ‘

12009

4845 [ ]

4645 VOICE MAIL BOX

Seancard [+ ]

FORCED DELETE | | Memory Re-initializ

12117
XDV

12117

2

o

255

>

255

o
&

255

[

SIP device

Defauke

Defaulc [+ ]

YES (-]

XDV
12117

XDV 12117

FORCED DELETE ‘ ‘ Memary Reinitialization

12117

etesting2

12117

a s
Not Used

On Demand

NO
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8.7.3 IX-DA, 12118

etesting2.etesting.Jab

FORCED DELETE | | Memory Re-initializati

@ i Shelf I General Characteristics
® & Media Gateway - Directory Number 12118
@® [] PWT/DECT System
@ g Symeem e Directoryname peoA
® i Translator
® . Directory First Name 12118
® #m Classes of Service Rights o
® i Acendant o UTF8 icectory e
© & Users (© i
(O] B 12118 - T-DA - 12113 - SIP device. YoiceMail UTF-§ Directory First Name:
@® = Users by profile
@ i Set Profile Faciides Location Node 5 B
®
@ 22 Groups Soi@mrs i Shett Address P s
® i Speed Dialing
@ {3 Phone Book e Board Address 255 5]
® i Eniities
@ i Trunk Groups. aw Equipment Address 255 El
® i Brernal services e —
@) i Inter-Node Links SetType SIP device u
@ & xes Other
@ = 0ATA Subype Default ]
® i Applications
® Pl i
Entity Numbs 1
@ 5 Specific Telephone Services ey Number E
®
® &AM SetFunction Defaulc ]
® i Events Routing Discriminator
® @ Security and Access Control Domain Identifier 0 =
®@sr
®esP Longuage D | s
® = DHCP Configuration
® 1O Alcatel-Lucent 889 Series. Seeret Code eoee
® ension
@ im SIP Exter Multifine station NO ]
® & Encryption
® 5 Passive Com. Server Can be Called/Dialed By Name Yis ]
@ i SNMP Configuration
(R} Rainbow Phone book Name (Dial by name) XDA
® Cloud Connect
Phone book First Name 12118
Displayed Name IXDA 12118
etesting2.etesting.lab FORCED DELETE | | Memory Re-infialization
® i shelf General Characteristics
® = Media Gateway o URL UserName 218
@ [ PTIDECT Sytem SIP URL Domain etesting2
® g System Assoc Sets <
® & Transiator v SIP Authentication 12118
@ 5 Classes of Service igt
@ i Amendane Profile SIP Passwd ceee
IP device VoiceMail External Gateway Number 1 =l
@ 5 Users by profile
@
© i Set Profile Facilties Gaeway type Not Used (-]
® 21 Groups
= Set Characteristics Video Support Profile On Demand
@® i Speed Dialing pport -]
®
© 1 Phone Book Foel Support UTF8 characters set NO [v]
® i Entities
@® im Trunk Groups oI
@ # External Services Miscellaneous
@ # Inter-Node Links
® Other
8.7.4 IX-SS-2G, 12119
etesting2.etesting.lab FORCED DELETE Memory Re-initializati
@ I General Characteristics
® Gareway o Directory Number 2119
@ [ PWI/DECT System e -
@ § Syseem AssocSers &
@ i Translator
4 ectory First Name 12119
@ i Classes of Service Rights "
® i Acendant erotie UTF- Dicecony Nare
© 3§ Users (§ i
S B 12119- 552G+ 1211 VoiceMail UTF Directory First Name
@ i Users by profile
© i Set Profie Facities Location Node 2 &
®
@ 22 Groups ETmemEie Shelf Address P B
@ i Speed Dioling
@ {8 Phone Book = Board Address 255 ]
@ i Entities
@ im Trunk Groups sP Equipment Address 255 ]
@ i External Services S
@ i Inter-Node Links Set Type SIP device ﬂ
@ i x25 Other
® im DATA Subtype Defaulc [~ ]
@ i Applications
@ Pl . o
Entity Number 1
@ i3 Specific Telephone Services ! E
@ &AM Set Funciion Defaulc [~ ]
@ i Events Routing Discriminator
@ & Securiy and Access Control Domain Identifier 0 -

@&P
@ @ P Language ID 1 E
@ i DHCP Configuration
@ 1B AlcatelLucent 8&9 Series. Secret Code
®
© & P Extersion Multi-ine sttion NO [~ ]
@ & Encryption
@ i Passive Com. Server Can be CalledDisled By Name Yes [~ ]
@ # SNMP Configuration

(® Rainbow Phone baok Name (Dial by name) ;US52G

® Cloud Connect

Phane book First Name 12119
played Name ;%5526 12119

IWR IX Range for OXE from Alphone
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etesting2.etesting lab

@ i Shelf

@ # Media Gateway
@ [] PWI/DECT System
® & System

® i Translator

@® i Classes of Service

@® i Users by profile
@ i SetProfile

@ 1 Groups

@ i Speed Dialing
@ [ PhoneBook

@ i Entities

@® i Trunk Groups
® i External Services
@® i Inter-Node Links
® im x5

@® i DATA

8.8 Hunting Group

Appendix C: ALE side CONFIGURATION

General Characteristics

URL UserName

PIN
SIP URL Domain

AssocSets

Rights SIP Authentication

Profile SIP Passwd

VoiceMail Exsernal Gateway Number

Facilities Gateway type

Set Characteristics Video Support Profle

Hotel

Support UTFB characters set

I SIP

Miscellaneous

Other.

12119

etesting2

12119

Not Used

On Demand

NO

FORCED DELETE | | Memory Re-initialization

The type of Hunt group can be Circular, Sequential and Parallel (not used with Multiline stations, SIP

Extension is Multiline).

etesting2.etesting.lab

Shelf

Media Gateway
® [J PWT/DECT System
System
Translator

®
@
®

@ i Classes of Service
® im Attendant
3 Users
@ i Users by profile
(® & Set Profile
(=) 42 Groups

-

e
RO

Pickup Group

> Hunt Group 1

(@ # Hurt Group Data/Fax S0
(@ 7 Call Routing Graup

~

@ i Speed Dialing
@ [ Phone Baok
(@ = Endties

@ @ Trunk Groups

@ i External Services

® Inter-Node Links

® i X25

@ i DATA

@ i Applications

(® = Specific Telephone Services
® ATM

® Events Routing Discriminator
® @ Security and Access Control
® P

@ & 5P

@ i DHCP Configuration

(@ IO Alcatel- Lucent 889 Series
@ i SIP Extension

@ &= Encryption

Directory Number

Directory Name

Domain Identifier

Type of Hunt Group

Circular Search Type
Release After Timer

Overflow Directory Number

Authorized Camp on Calls

Connection COS

Public Network COS

Call Restriction COS

Unavailable Authorized

Greeting Guide

12116
12126
12128

@ Add an element

Entity Number

Priority Group

IWR IX Range for OXE from Alphone

12137

PO( Hunt Group

Sequential

50

Modify Reference No

DIR.NO ASSIGNED TO THE GROUP
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8.9 Twin Sets

etesting2.etesting.lab _

FORCED DELETE ‘ | Memory Re-initialization

@ i Shelf General Characteristics
@ Media Gateway Associated Set No. 12127
PIN
@ [] PWT/DECT System
Called Associated DECT set
® 8 Syseem I AssocSets
P
® @ Translator Assistant Directory Number 12127
@) 7 Classes of Service Rights
@® i Atendant —— TANDEM
S 1U5ES . Tandem Directory Numb 12116
0] [ 12127 etesting2-80785 - 12127 [EERVSIAVA] andem Directory Numboer
(@) i Users by profile Main set in the tandem
@ 9 Set Profile = _
o 9G Partal busy
@ 44 Groups Set Characteristics
() i Speed Disling Ringing in partial busy Long Ring H
@ [ Phone Book Hotel
@® i Entities Specific supervision
)
@® i Trunk Groups £
@ i External Senvices Miscellaneous ATTACHED MULTIDEVICE
@ i Inter-Node Links
@ i X5 Other (® Add an element
@ im DATA
@ im Applications
@ i Specific Telephane Services
g —

8.100XE Licensing

To check the licensing locks from OPS file, use “spadmin” command into console ssh.

Lock 177 M SIP users=xx - Should be set with right value to create all SIP terminals.
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8.11Additional information

8.11.1 DNS query from IX stations to DNS server to know IP address of
etesting2.etesting.lab

I 3367 9.062808 10.1.4.10@ 10.1.2.15 DNs  82|Standard guery @x2Jdc A etestingl.etesting.labj
3368 9.088265 18.1
1 SIP/SDP
1. SI 7 Status: 100 Trying |
9.144825 0 .10 : Status: 484 Not Found |
3380 9.265512 1
381 9.2 88 1
3382 9.289742 1 . A-Etesting2.etesting.lab A 10.1.6.1
3389 9.398733 18.1.6.3 10.1.4.10 RTP 890156, Seq=61217, Time=262706160

Internet Protocol Version 4, Src: 10.1.2.15, Dst: 10.1.4.10
User Datagram Protocol, Src Port: 53, Dst Port: 48577
Domain Name System (response)
Transaction ID: @x22dc
» Flags: @x84@0 Standard query response, No error
Questions: 1
Answer RRs: 1
Authority RRs: @
Additional RRs: @
> Queries

~ |Answers
> etesting?.etesting.lab: type A, class IN, addr 10.1.6.1

Reguest In: 3367
[Time: ©.025457000 seconds]

8.11.2 NTP Query from MV7 to OXE CS

Frame 1262315: 9@ bytes on wire (720 bits), 9@ bytes captured (7208 bits) on interface \Device\NPF_{8A862B12-7DA4-4A9C-B8E7-C15B47A413C2}, id @

>

> Ethernet II, Src: Aiphone_3@:14:ea (@0:8b:aa:30:14:ea), Dst: VMware_f1:90:33 (00:0c:29:f1:90:33)

> Internet Protocol Version 4, Src: 10.1.4.10, Dst: 10.1.6.1

» User Datagram Protocol, Src Port: 123, Dst Port: 123

v Network Time Protocol (NTP Version 4, client)

v Flags: 0xe3, Leap Indicator: unknown (clock unsynchronized), Version number: MNTP Version 4, Mode: client

11.. ... = Leap Indicator: unknown (clock unsynchronized) (3)
..18 8... = Version number: NTP Version 4 (4)

.... 011 = Mode: client (3)
Response In: 1262316
Peer Clock Stratum: unspecified or invalid (@)
Peer Polling Interval: invalid (3)
Peer Clock Precision: @,015625 seconds
Root Delay: 1,000000 seconds
Root Dispersion: 1,000000 seconds
Reference ID: NULL
Reference Timestamp: NULL
Origin Timestamp: NULL
Receive Timestamp: NULL
Transmit Timestamp: Jul 15, 2828 15:38:05.024262668 UTC
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> Frame 1262450: 90 bytes on wire (720 bits), 90 bytes captured (720 bits) on interface \Device\NPF_{8A862B12-7DA4-4A9C-B8E7-C15B47A413C2}, id @

> Ethernet II, Src: VMware_f1:90:33 (0@:0c:29:11:9@:33), Dst: Aiphone_30:14:ea (00:0b:aa:308:14:ea)

> Internet Protocol Version 4, Src: 10.1.6.1, Dst: 10.1.4.10

> User Datagram Protocol, Src Port: 123, Dst Port: 123

v Network Time Protocel (NTP Version 4, server)

v Flags: 0x24, Leap Indicator: no warning, Version number: NTP Version 4, Mode: server

00.. .... = Leap Indicator: no warning (@)
..10 @... = Version number: NTP Version 4 (4)

. .100 = Mode: server (4)

Request In: 1262449

[Delta Time: ©.024357000 seconds]

Peer Clock Stratum: secondary reference (6)

Peer Polling Interval: invalid (3)

Peer Clock Precision: @,000002 seconds

Root Delay: 0,000000 seconds

Root Dispersion: 7,947952 seconds

Reference ID: 127.127.1.0

Reference Timestamp: Jul 15, 2020 15:37:15.401360150 UTC

Origin Timestamp: Jul 15, 2020 15:38:11.824076425 UTC

Receive Timestamp: Jul 15, 2020 15:37:47.793076252 UTC

Transmit Timestamp: Jul 15, 2020 15:37:47.793204331 UTC

8.11.3 NTP query from IX-SS-2G

Frame 1262820: 9@ bytes on wire (7208 bits), 90 bytes captured (72@ bits) on interface \Device\NPF_{8A862B12-7DA4-4A9C-B8E7-C15B47A413C2}, id @
Ethernet II, Src: Aiphone_2c:@e:32 (00:0b:aa:2c:0e:32), Dst: HewlettP_d4:52:92 (c8:cb:b8:d4:52:92)
Internet Protocol Version 4, Src: 10.1.4.13, Dst: 10.1.2.15
User Datagram Protocol, Src Port: 123, Dst Port: 123
Network Time Protocol (NTP Version 4, client)
v Flags: @xe3, Leap Indicator: unknown (clock unsynchronized), Version number: NTP Version 4, Mode: client
11.. Leap Indicator: unknown (clock unsynchronized) (3)
..1e o. Version number: NTP Version 4 (4)
v... 2011 = Mode: client (3)
Response In: 1262822
Peer Clock Stratum: unspecified or invalid (@)
Peer Polling Interval: invalid (3)
Peer Clock Precision: ©,015625 seconds
Root Delay: 1,000000 seconds
Root Dispersion: 1,000000 seconds
Reference ID: NULL
Reference Timestamp: NULL
Origin Timestamp: NULL
Receive Timestamp: NULL
Transmit Timestamp: Jan 7, 2018 19:40:39.56257@116 UTC

{ v vvyv

Frame 1262820: 90 bytes on wire (728 bits), 90 bytes captured (720 bits) on interface \Device\NPF_{8A862B12-7DA4-4ASC-B8E7-C15B47A413C2}, id @
Ethernet II, Src: Aiphone_2c:@e:32 (00:0b:aa:2c:@e:32), Dst: HewlettP_d4:52:92 (c8:cb:b8:d4:52:92)
Internet Protocol Version 4, Src: 10.1.4.13, Dst: 16.1.2.15
User Datagram Protocol, Src Port: 123, Dst Port: 123
Network Time Protocol (NTP Version 4, client)
v Flags: Oxe3, Leap Indicator: unknown (clock unsynchronized), Version number: NTP Version 4, Mode: client
11.. .... = Leap Indicator: unknown (clock unsynchronized) (3)
..10 @... = Version number: NTP Version 4 (4)
... .011 = Mode: client (3)
Response In: 1262822
Peer Clock Stratum: unspecified or invalid (@)
Peer Polling Interval: invalid (3)
Peer Clock Precision: 0,015625 seconds
Root Delay: 1,000000 seconds
Root Dispersion: 1,000000 seconds
Reference ID: NULL
Reference Timestamp: NULL
Origin Timestamp: NULL
Receive Timestamp: NULL
Transmit Timestamp: Jan 7, 2018 19:48:39.562570116 UTC

L vvwvw
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8.11.4 SIP Server configuration for all 4 IX stations

Appendix C: ALE side CONFIGURATION

Station Information Network Settings Text in red are required settings
Identification SIP
# Primary Server Secondary Server Tertiary Server
Humeer i il 1D Passw| IPv4 Address IPv6 A Port D Password | IPv4 Address IPv6 Add Port | ID Password | IPv4 Address
0001 12116 mv7 IX-MV7-* 12116 o+ efesting2 etesting 5060 12116 **** 10.10.11.20 5060
0002 12117 dv IX-DV, IX-DVF(-*)| 12117 ****  stesling2 etesting 5060 12117  **** 10.10.11.20 5060
0003 12118 da IX-DA 12118 = 10161 5060 12118 **** 10.10.10.11 5060 12118 *** 10.10.11.20
0004 12119 5829 1X-S5-2G 12119 e etesting2 etesting 5060 12119 = 10.10.11.20 5060

8.11.5 Call settings for Group01 (DV and SS-2G)

Station Information Call Settings Text in red are required settings
Identification Called Stations (Door/Sub Stations)
# Total | Group 01
Number Name Loc| Station Type Number / Name / Station Type
'olP Phone 12127 /1 8078S / VoIP Phone 12137 / HuntGroupSIP / VolP Phone 12138/8088 SIP / VoIP Phone
0002 dv IX-DV, IX-DVF(-*) 1 U
0003 12118 da IX-DA 0
0004 12119 ss2g 1X-85-2G 1 u

IX-DA is into Group 10.

8.11.6 IX Transfers configured in IX Support Tool

These transfer are only for calls between IX stations and IX-MV7 using the proprietary protocol
(Unicast) and not for SIP PBX calls from OXE phones or IX stations using SIP PBX to call MV7 (SIP

in Call Settings).

Row P
Table View
Display
Number of Notes:2 |1 |X-MV7-* can set Max.10 Transfer Destinations and Max. 1 Re-Transfer Destination.
Station View 2. 1X-MV can set Max.1 Transfer Destination

@- Station Information Station Information Transfer Settings Text in red are required settings
- Network Settings |dentification Delay Transfer
&- System Information # Transfer Destination List Re-Transfer De
- Call Settings [
- 0 Number Name| Loc| Station Type Delay Transfer | Delay Time [sec] Number
(#- Option Input/ Relay Output Settir Station List Station List
@ Paging Seftings No.01 |No.02 |No.03 |No.04 No.05 No06 |No.O7 |No.08 No.09 |No.10 |
- Function Settings 0001 12116 mv7 IX-MVT-* Enable 10 12126 Open
- Transfer Settings

Absent Transfer

Delay Transfer

Schedule Transfer

Lock Transfer
(- Station Seftings

Station Information Call Sattings

identiication | Called Stations (DoorSub Stations)
" Total Group 01

Number | Name: Loc| Station Type Number / Name / Station Type

12116 § mvT { IXMVT-*

121174

0002 12117 v 1X-DV, DCDVF(-) 1
0003 12118 da 1X-DA 0
0004 12119 ss29 1X-55-26 1 |sP ‘v
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